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PREFACE

This dissertation was produced in accordance with guidelines which permit the inclusion as
part of the dissertation the text of an original paper or papers submitted for publication.
The dissertation must still conform to all other requirements explained in the “Guide for the
Preparation of Master’s Theses and Doctoral Dissertations at The University of Texas at
Dallas.” It must include a comprehensive abstract, a full introduction and literature review,
and a final overall conclusion. Additional material (procedural and design data as well as
descriptions of equipment) must be provided in sufficient detail to allow a clear and precise

judgment to be made of the importance and originality of the research reported.

It is acceptable for this dissertation to include as chapters authentic copies of papers already
published, provided these meet type size, margin, and legibility requirements. In such cases,
connecting texts which provide logical bridges between different manuscripts are mandatory.
Where the student is not the sole author of a manuscript, the student is required to make an
explicit statement in the introductory material to that manuscript describing the student’s
contribution to the work and acknowledging the contribution of the other author(s). The
signatures of the Supervising Committee which precede all other material in the dissertation

attest to the accuracy of this statement.
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Ahmed Mohammed Hesham Mehana, Ph.D.
The University of Texas at Dallas, 2012

Supervising Professor: Dr. Aria Nosratinia

In this dissertation, the reliability and throughput of equalization and precoding techniques
are analyzed in both several multiple-input multiple-output (MIMO) as well as single-input
single-output (SISO) scenarios, resulting in several new discoveries as well as explanation

certain phenomena that were known but not fully understood.

The first part of this dissertation establishes the diversity of the minimum mean square
error (MMSE) MIMO receiver for all fixed rates (spectral efficiencies) in the quasi-static
flat-fading MIMO channel. It is shown that full spatial diversity is achieved for all antenna
configurations if and only if the rate is below a threshold which itself is a function of the
number of antennas. The diversity of the MIMO multiple access channel (MAC) is also
obtained. Linear receivers for the quasi-static frequency selective MIMO channel are also

analyzed.

The second part of the dissertation is dedicated to linear MIMO precoders, including Wiener
filtering, regularized zero-forcing filtering and matched filtering. It is shown that regularized
zero-forcing or matched filter suffer from error floors for all positive multiplexing gains. In

the fixed-rate regime, these precoders achieve full diversity up to a certain spectral efficiency

vil



and zero diversity at rates above it. The diversity in the presence of both linear precoding

and linear equalization is also analyzed.

The third part of the dissertation investigates the performance of common transmit diversity
techniques, such as Alamouti and cyclic-delay diversity schemes, when used with linear

receivers. The effect of block length on the system performance is fully characterized.

The fourth and final part of the dissertation investigates decision feedback equalizers in
SISO ISI channels. As part of the developments of this part, the notion of the spectral
representation of random processes is used for a rigorous analytical framework of decision

feedback equalizers.
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CHAPTER 1
INTRODUCTION

1.1 Background

Wireless communications has seen a rise in popularity that has driven new discoveries. Many
factors have contributed to this trend, including the increasing demand for connectivity, the
progress of integrated circuit technology as well as the successful deployment of standards
that have rapidly expanded the availability of wireless connectivity, thus creating more de-
mand for new products and services, and the fundamental discoveries that make them pos-
sible. Despite great advances, many open problems in this area persist. This dissertation is
dedicated to the solution of several long-standing open problems in the analysis of popular

wireless transceivers.

Two phenomena in wireless communication produce challenges that are unique to the
medium: fading and interference phenomena. The former describes the variation of the
channel strength due to small-sale and large-scale effects of multipath fading; the latter
describes the interactions between different transmitted signals in the same medium. Inter-
ference can naturally occur in a multi-user scenario, but it can also occur in a single-user
scenario when multiple signal components of the same user interfere with each other, which
can be thought of as self-interference. Examples of self-interference include signals emitting
from multi-antenna transmitters (interference in space) or inter-symbol interference (ISI)
which is interference across time. This dissertation analyzes various transceivers that are
designed to efficiently address the question of fading and interference in wireless systems.
With very few exceptions, most of the transceivers analyzed in this dissertation are linear

and operate on multiple-input multiple-output (MIMO) channels.



Several metrics have been widely adopted to characterize the performance of wireless
systems, among them the average probability of error and the outage probability. In the
fading channel, these quantities are partially characterized by the notion of diversity [1,2],
i.e., the slope of error probability as a function of SNR in the log-log scale. While in non-
fading channels the probability of error decreases exponentially with the signal-to-noise ratio
(SNR), in fading channels the probability of error averaged over the channel distribution is

proportional to SNR™?, where d is the channel diversity.

At high SNR the channel throughput increases proportionally with log SNR. It has been
shown that a fundamental tradeoff exists between this throughput and the channel reliability
as expressed by the diversity. This tradeoff was characterized for the MIMO channel under
maximum likelihood decoding by the seminal paper of Zheng and Tse [2], leading to the
widespread use of the Diversity-Multiplexing Tradeoff (DMT) as a metric of quality for a

variety of wireless systems and algorithms.

1.2 Motivation and Objectives

The primary objective of this dissertation is an in-depth study of the performance limits of
multiple input multiple output (MIMO) systems in the presence of linear receivers and/or
linear precoders. Although several DMT results are also obtained, the main thrust of this

work is in the fixed-rate regime, i.e., when the spectral efficiency R is independent of SNR.

The DMT is a powerful framework but it is not able to describe the diversity in the
fixed rate regime, because the DMT cannot distinguish between different spectral efficiencies
R that correspond to the same multiplexing gain r. In several practical systems, various
spectral efficiencies R, all corresponding to the same multiplexing gain, indeed give rise to
different diversities [1,2]. The difference between calculating the diversity in the fixed rate

regime versus in the DMT is further clarified in Chapter 2.

Fixed rate analysis of diversity requires new tools compared with DMT analysis, since

certain terms and mathematical expressions in DMT analysis are asymptotically negligible



and can be ignored, while the counterparts in fixed-rate analysis are not negligible and must

be handled delicately.

1.3 Outline and Contributions

Chapter 2 briefly discusses the basics and background material on which the remainder of

the dissertation rests.

Chapter 3 analyzes the MIMO MMSE receiver under flat fading channel assumption and
the diversity is explicitly characterized as a function of spectral efficiency R and the number
of antennas. The MIMO multiple access channel (MAC) is similarly studied and the diversity

of reception is computed.

Chapter 4 extends the results of the previous chapter and studies the performance of the
MIMO MMSE receiver in the frequency selective channel under two common transmission

schemes: the zero-padding and the cyclic-prefix tranmission.

Chapter 5 studies the MIMO precoding systems when channel state information is avail-
able at the transmitter. Several precoding filters are analyzed, including the zero-forcing,
the regularized zero-forcing and the matched filter. The analysis reveals that the matched
filter and the regularized zero-forcing are not always interference-limited. Their performance
depends on the spectral efficiency and in some cases these two filters achieve the maximum
spatial diversity in contrast to the zero-forcing filtering. Several other results pertaining to

MIMO precoders were also obtained.

Chapter 6 extends the analysis of the previous chapters to MIMO systems with linear

transmit and receive filters under the flat fading channel.

Chapter 7 analyzes two common transmit diversity techniques, Alamouti signaling and
cyclic delay diversity, in the presence of the MMSE receiver. The effect of the block length,
the antenna configurations, and the spectral efficiency on the system performance is fully

characterized.



In order to improve the performance of the MIMO linear receivers, lattice-reduction aided
equalization has been proposed in the literature for MIMO flat fading and SISO frequency
selective channels. Chapter 8 analyzes the LR-aided equalization for MIMO frequency se-

lective channel.

Chapter 9 analyzes the decision-feedback equalizer for the SISO ISI channel. As part of
the developments of this chapter, the spectral representation of random processes is used to

put the analysis of decision feedback equalizers on a more solid mathematical foundation.



CHAPTER 2
PRELIMINARIES

This chapter provides a review some information-theoretic concepts and performance mea-

sures used throughout this dissertation.

2.1 Information Rate and Decoding Reliability

The framework to study performance limits in communication systems is information theory
established by Claude Shannon in 1948. Shannon characterizes the limits of reliable commu-
nication by proving the surprising result that one can communicate at strictly positive rate
with as small error probability as required. ! Consider the complex baseband representation
of the channel

y=hzx+n (2.1)

where x and y are the input and the output of the channel respectively, h is the channel

(possibly fading) and n is the thermal noise at the receiver modeled as AWGN ~ N(0,02)

2

~ is the noise variance. The maximum rate of reliable communication supported

where o
by this channel depends on the process {h} as well as how much information about {h} is

available at the transmitter and the receiver.

Conditional on the realization of h and assuming that the transmitter does not know this
realization but the receiver does (this information denoted by the channel state information
at the receiver CSI-Rx), the maximum rate of reliable communication supported by this

channel is

log(1 + |h|*p) bits/s/Hz (2.2)

'Before Shannon it was widely believed that the only way to achieve reliable communi-
cation over a noisy channel was to reduce the data rate [3].



which is the capacity of AWGN channel with a fixed gain h and p is the signal-to-noise ratio
(SNR). The quantity in (2.2) is indeed the Shannon capacity for AWGN under the above

assumptions.

2.2 Shannon Capacity vs. Fading Capacity

If the channel {h} is a fading process, as it is usually the case for wireless channel, then
the quantity in (2.2) is random. If the channel h remains fixed over the transmission period
of the the codeword then the model is slow fading model. It is quite possible that for
some realizations of {h} the channel cannot support the transmission rate. That is, if the
transmitter encodes the data at a rate (spectral efficiency) of R bits/s/Hz then there is a
non-zero probability that log(1 + |h|?p) < R in which case the error probability is strictly
positive. The Shannon capacity in this case is strictly zero. Instead it is possible to define
the outage probability

P,u(R) = P(log(1 + |h[*p) < R) (2.3)

and correspondingly define the e-outage capacity [4], which is the largest rate for which
Pout(R) <€
C. £ sup {R P < e}. (2.4)

These two measures, P,,; and C,, are used to characterize the performance limits of the
slow fading model where the codeword only spans one coherence period (i.e. the channel
is fixed over this period). When the codeword spans more than one coherent periods the

model is fast fading model. The capacity of the fast fading channel can be shown to be
C = E[(log(1 + [n[*p)]. (2.5)

which is achieved by large number of coherence time intervals.

An extreme case for the fast fading model is when the channel is varying so fast such that
each codeword symbol experiences a different channel gain. An intermediate case between

the so-fast fading model and the slow fading model is when h remains fixed over a period of



codeword symbols and is i.i.d. across different coherent periods. This model is called block

fading model and is widely adopted in practical applications.

2.3 Diversity: Fixed-Rate Regime vs. Variable-Rate Regime

Reliable communication over fading channel depends on the strength of the signal path, i.e.
the channel gain, which can sometime be in deep fade and therefore results in very poor
communication. A natural solution to improve the communication performance is to ensure
that the information symbol experience multiple independent channel gains through diversity
techniques. Diversity techniques can be performed over time or frequency (e.g. coding and
interleaving), space (e.g. multiple antennas) or networks (e.g. cellular networks) [3]. These
techniques result in a probability of error P, that is proportional p~% at high SNR, where d

is the diversity order of the system.

Another important parameter, especially in MIMO systems, is the multiplering gain or
degree of freedom. Consider an M x N MIMO channel model (where M and N are the

number of transmit and receive antennas respectively)
y=Hx+n (2.6)

where H is a stationary ergodic random fading process. For the fast fading model and

CSI-Rx and no CSI-Tx, a celebrated capacity result is given by
Chinio = E[(log det (1 + - HH")]. (2.7)

with the assumption of equal power allocations for all transmitted streams. At high SNR,

the MIMO capacity is approximated by
_ P
CMIMO = Timin lOg (M) A NminCAWGN- (2.8)

where Ny, 2 min(M, N) and Cawey is the high-SNR capacity of AWGN single antenna

channel with transmit equivalent SNR £7.



For a square MIMO system where M = N = n we also have the following interesting

result. For a fixed SNR and large value of n [3]

OMIMO ~ nc*(p) (29)

where
*(p) = 2log (0.25(y/4p+ 1+ 1)) — %(iju 1—1)
Equation (2.9) implies that the capacity increases linearly with n at any SNR.
The pre-log factor in (2.8) and (2.9) is called the multiplexing gain or degree of freedom,
and is usually denoted by r .
The dual benefits of MIMO communication at high SNR (represented by the multiplexing

gain r and the diversity gain d) is well captured by the diversity-multiplexing tradeoff (DMT)

framework formulated in the seminal work of Zheng and Tse [2].

Definition 2.3.1 Let the rate R scales with logp as [2, 3]
R =rlogp.

An outage diversity gain dy,(r) is achieved at multiplexing gain r if the outage probability

satisfies

log P,,:(r1
hm 0og t(r 0og p) — _dout(r)
p—00 log p

This definition is used to characterize the slow fading performance of the channel [2,3]. We

can correspondingly define a DMT framework for a communication scheme by replacing P,,;

by P,.

Definition 2.3.2 A space-time scheme is a family of codes, indexed by the signal-to-noise
ratio p, achieves a multiplexing gain r and a diversity gain d is the data rate scales as [2, 3]
R=rlogp

and the error-probability satisfies

. logP,
lim =
p—oo log p




Usually outage analysis in many MIMO systems is more tractable than error analysis,
therefore DMT is often obtained via outage analysis and then rigorous proof is usually carried

out to bound, if possible, the error via outage and hence characterize the DMT.

The diversity in the fixed rate regime (i.e. R is not function of p) cannot be in general de-
duced from the DMT result by setting » = 0. The reason is that there is no solid relationship
between d(r) and d(0). The standard DMT arguments in [2] are based on developments that
depend critically on the positivity of r in two specific instances. One instance is the proof
of [2, Lemma 5|, which depends critically on r being strictly positive.? More importantly, the
asymptotic outage calculations in [2, p. 1079] implicitly use » > 0 and result in the outage
region:

A={a:) (1—a)t <r}

i
where «; are the exponential order of the channel eigenvalues, i.e., \; = p~. If we set r =0

this expression implies that the outage region is always empty, which is clearly not true.

Thus, the DMT as calculated by the standard methods of [2] cannot be assumed to
extend to r = 0. It is true that sometimes the function d(r) is indeed continuous at zero,
including all the examples in [2]. But it should not be assumed that this continuity always
holds. In fact, there are systems where d(0), the diversity at multiplexing gain zero, is not
even uniquely defined. Rather, it takes multiple values as a function of rate R. This fact
has been observed and analyzed, e.g., in [5-7]. The work in the present dissertation also

produces several examples of this phenomenon.

2This is not the most critical point, because a slightly reformulated version of this lemma
can be developed that holds at fixed rates [5].



CHAPTER 3
LINEAR RECEIVERS IN MIMO FLAT FADING

3.1 Introduction

Linear receivers are widely used for their low complexity compared to maximum likelihood
(ML) receivers. In the context of MIMO systems, linear receivers such as the minimum mean
square error (MMSE) receiver are adopted in some of the emerging standards, e.g. IEEE
802.11n and 802.16e. Therefore the analysis of MMSE receivers is strongly motivated by

both theoretical and practical considerations.

A significant amount of research has focused on linear receivers, however, their perfor-
mance is not fully understood in the MIMO channel. For instance, the distribution of the
output signal-to-interference-plus-noise ratio (SINR) of the linear MIMO receiver is still un-
known except in asymptotic regimes (large number of antennas, and high/low SNR) [8-11].
The outage and diversity of MMSE receiver have also been a subject of interest. It has been
observed [6,7,12] that while the MMSE receiver can extract the full spatial diversity of the

MIMO quasi-static channel at low rates, it does not enjoy this feature at high rates.

Figure 3.1 shows the outage probabilities (for various spectral efficiencies R bps/Hz) of
MMSE and ML receivers respectively. Clearly, one of the main differences between the two
characteristics is the slope of the error curves, i.e., the diversity. Figure 3.1 shows that
in a 2 x 2 MIMO system the ML receiver achieves diversity 4 at all rates. However, the
MMSE receiver diversity varies with the operating spectral efficiency. From a system design
perspective, obtaining the MMSE diversity is important in order to understand the broad
tradeoffs involved in the determination of the operating point of the system and predicting

its performance.

10
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Figure 3.1. Outage probability of ML receiver (left) and MMSE (right) with M = N = 2
antennas and for rates R= 1, 4, and 10 bps/Hz

In this work we seek answers for the following questions: when can the MMSE receiver
exploit the full diversity in MIMO channel? More generally, how does the diversity of the
MMSE receiver vary with the system parameters such as spectral efficiency R, the number

of antennas, and in case of inter-symbol interference channel (ISI), the channel memory?

The well-known and powerful framework of diversity-multiplexing tradeoff (DMT) is not
sufficient to answer the above questions, because the DMT framework cannot distinguish
between different spectral efficiencies that correspond to the same multiplexing gain. In the
MIMO MMSE receiver, rates that correspond to the same multiplexing gain can produce

different diversities.

We approach the problem of MMSE reception in MIMO flat fading channels through a
rate-dependent approximation of the outage probability and then proceed with bounding
the pairwise error probability (PEP) from both sides using the outage. This leads to a
closed-form expression for the diversity-rate tradeoff which reveals the relationship between
diversity, spectral efficiency, and number of transmit and receive antennas. The approxima-
tion of outage and PEP as functions of rate requires more delicate handling compared with
the DMT analysis, as certain ratios and terms that simply vanish in the DMT analysis are

in our case relevant and must be carefully handled.
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We then analyze the frequency-selective, quasi-static MIMO channel. Specifically we con-
sider single carrier (SC) MMSE equalization under zero-padding (ZP) and cyclic-prefix (CP)
transmission. SC-MMSE provides an attractive alternative to orthogonal frequency division
multiplexing (OFDM) due to its low complexity and natural avoidance of the peak-to-average
power ratio problem. The use of cyclic prefix and zero padding has been investigated in the
literature, but the explicit tradeoff between the spectral efficiency and diversity of MIMO
SC-MMSE under these two schemes has been unknown and is the subject of our work. We
show that the diversity is a function of number of antennas, channel memory and spectral

efficiency, and obtain the explicit tradeoff in the special case of SIMO under CP transmission.

The results of this chapter fully characterize the MIMO MMSE diversity in the fixed rate
flat quasi-static regime. We analyze both the cases N > M and N < M, showing that in
either case it is possible for the system to be limited to a diversity strictly less than M N.
More specifically, the central result of the chapter is as follows: with M transmit and N
receive antennas (for any N and M) the diversity is d = [(M2_% — (M — N)+)+12 +|N —
M| [(MQ_% — (M — N)*)Jr}, where (-)* = max(0, -) and [-] denotes rounding up to the next
higher integer. Our results confirm and refine the earlier approximate results on the diversity
of MMSE MIMO receivers that were obtained for very high and very low rates [6,7,12]. The
MIMO MAC channel is also studied.

Some of the related literature is as follows. The performance of MMSE receiver in terms
of reliability goes back to [13] where outage analysis was performed for MMSE SIMO di-
versity combiner in a Rayleigh fading channel with multiple interferers. In the context of
point-to-point MIMO systems, Gore et al. [14] compared the performance of MMSE D-
BLAST with the ordered successive cancellation V-BLAST. They show that the former has
better throughput at low- and moderate SNR. Onggosanusi et al. [12] studied MMSE and
zero-forcing (ZF) MIMO receivers and noticed their distinct outage performance at high-
SNR, specifically for large number of transmit antennas and low spectral efficiencies R, but

provided no analysis.
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Hedayat and Nosratinia [6] considered the outage probability as a function of fixed rates
R under joint and separate spatial encoding, but for MMSE they obtained results only in the
extremes of very high and very low rates. Kumar et al. [7] provided a DMT analysis for the
system of [6] and observed that the DMT analysis does not predict the diversity of MMSE
receivers at lower rates. We note that all existing analyses are limited to the case where the
number of receive antennas (V) is greater than or equal the number of the transmit antennas
(M).

This chapter is organized as follows. Section 3.2 describes the system model. Section 3.3
finds the exponential order of outage. Section 3.4 bounds the codeword error probabilities
using the outage values, and derives the final result. Section 3.5 extends the result to the

MAC channel. Section 3.6 provides simulations that illuminate our results.

3.2 Linear Receivers

The input-output system model for flat fading MIMO channel with M transmit and N
receive antennas is given by

y=Hx+n (3.1)

where H € CV*M ig the channel matrix whose entries are independent and identically dis-
tributed complex Gaussian, x € C ™*! is the transmitted vector, n € C ¥*! is the Gaussian
noise vector. The vectors x and n are assumed independent. We assume a quasi-static flat
fading channel and perfect channel state information (CSI) at the receiver (CSIR) and no

CSI at the transmitter (CSIT), therefore transmit antennas operate with equal power.

We aim to characterize the diversity gain, d(R, M, N), as a function of the spectral
efficiency R (bits/sec/Hz) and the number of transmit and receive antennas. This requires a
pairwise error probability (PEP) analysis which is not directly tractable. Instead, we find the
exponential order of outage probability and then demonstrate that outage and PEP exhibit

identical exponential orders.
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Figure 3.2. MIMO system with linear MMSE receiver

Following the notation of [15], we define the outage-type quantities

Pou(R, N, M) 2 P(I(x;y) < R) (3.2)

dout(R, N, M) é — lim logPoult(R, M, N)
p—00 og p

where p is the per-stream signal-to-noise ratio (SNR).

We say that the two functions f(p) and g(p) are exponentially equal, denoted by f(p) =

9(p) when
log f(p) i 108 9(p)

1m =
p—co log(p)  p=oc log(p)

The ordering operators < and > are also defined accordingly. If f (p) = p?, we say that

d is the exponential order of f(p).

3.2.1 MMSE Equalizer

The equalizer, denoted by W, decouples the M transmitted data streams at the receiver
(Figure 3.2). The MMSE equalizer is obtained by minimizing the mean square error (MSE)
defined as E[||x — WHy]||?]. Tt is usually assumed [6,7] that the number of transmit antennas
M is no more than that of receive antennas N. In the following, we start with N > M but

later generalize it to N < M as well.

For N > M, using the orthogonality principle, the MMSE equalizer is given by [12, 16]

W =H"HH" +p ')

= H"H +p ') 'HY (3.4)
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The corresponding signal-to-interference and noise ratio (SINR) of the output stream k
of the MMSE detector is

1
-1
I+ pH"H),,! ’

=7 I<k<M (3.5)

where () denotes matrix Hermitian, (-);,} denotes the diagonal element k of the matrix
inverse.

For the case N < M, it can be shown using a technique! very similar to [13, Appendix

A] that the SINR expression (3.5) is again valid.

The square matrix W = H”H is random, non-negative definite, and obeys the Wishart
Distribution [17,18]. In this work, the joint distribution of the eigenvalues of this equivalent
channel matrix opens the door to the development of our analysis, as is also the case in many

other MIMO results.

The equalizer output is

y = WHx + Wn. (3.6)

The signal streams of the transmit antennas may be either separately or jointly encoded.
Separate encoding is simpler and has been fully analyzed [6], but we mention the central

result for completeness.

Theorem 3.2.1 ( [6,7]) In a MIMO system consisting of M transmit and N receive an-

tennas (N = M ), under separate spatial encoding, the MMSE receiver achieves the diversity
dout(RyN, M) =N — M + 1 (3.7)

under either uniform or non-uniform rate assignment.

Furthermore, it has been established [6,7] that the zero forcing equalizer achieves diversity

N — M + 1 under both joint or separate spatial encoding.

According to Theorem 3.2.1, a MMSE receiver operating under separate spatial encoding

(e.g. horizontal encoding V-BLAST) will have no more diversity gain than ZF receiver.

Tn [13] an MMSE diversity combiner is used at the receiver in the presence of one transmit
antenna and M interferers.
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3.3 Outage Analysis

We now consider the MMSE diversity where the data stream is first encoded then multiplexed
into M sub-streams, each transmitted by one antenna. This approach is known to improve
the performance compared with separate coding of the streams [3]. Outage occurs if the
channel fails to support the target rate [17]. After channel equalization, the M sub-streams
1}, are decoupled and thus the mutual information between the transmitted vector x and the

received vector y given CSIR is [12]

I(x,y) = Z I(z, yx) (3.8)

k=1

Thus from (3.2) and (3.8), P, is given by

Pt = P(i log(1 + ) < R> (3.9)

k=1
Substituting MMSE SINR (7) from (3.5) in (3.9) we get
M
Py = P(Z log(I+ pW), > —R) (3.10)
k=1

The dependence on the diagonal elements of the random matrix (I+pW),! makes further
analysis intractable. We instead proceed to provide lower and upper bounds on the outage
probability. In Section 3.4 we will show that outage probability (P,,;) and pairwise error
probability (PEP) exhibit identical exponential error.

3.3.1 Outage Upper Bound

Lemma 3.3.1 For an MMSE MIMO system consisting of M transmit and N receive an-

tennas, under quasi-static Rayleigh fading, we have

Pout<R, ]\47 N)<p_dout(R,M7N)
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where
. 2
dous(R, M, N) = [(MZM (- N)ﬂﬂ ¥
IN — M| {(Mz—ﬁ - (M—N)+)+—‘. (3.11)
where () denotes the max(0, -).

Proof We begin by bounding the sum in (3.10) via Jensen’s inequality

M
1
Zlog (T+pW),, <Mlog(z T+ WV)i)

k=1

M
— Mlog (~— 12
o8 MZHpAk (3.12)

where (3.12) is true because trace is equal to the sum of eigenvalues.

Notice that for N < M only N eigenvalues are non-zero. hence (3.12) can be written as

L
1 1
Mlog (—3" M— N)* 3.13
Og(Mk:11+p)\k+( )> (3.13)

where L = min(M, N).

Substituting (3.13) in (3.10), we have

L
R
M2y — (M — N)* 3.14
(;Hm (o1 - Ny (3.14)
Define:
A log Ay
o = — , for k=1,...,n (3.15)
log p

based on which we can write the exponential equality

1 ' Pl <1
1+ p/\k a

(3.16)
1 ap > 1
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Define a = [ay, ..., @] and a new random variable

231 (3.17)

ap>1

This definition is based on the observation that the term defined in (3.16) is either

1+ Xk
zero or one at high SNR, therefore to characterize ), ﬁ at high SNR we count the ones.

Thus

n

> 1+p}\k—21+2p (3.18)

ap>1 ap<l
= M(a)+ max p*? (3.19)
{ak:ak<1}
M () inherits its randomness from Aj,..., A,. The bound in (3.14) is evaluated by com-

puting the probability of {ax € A}, where A = {a : M () + max(q,.ap<13 p* > M2 31 —
(M — N)*} denotes the outage event based on the approximation in (3.14). In order to
evaluate the probability of this event we need the joint distribution of the eigenvalues, or
equivalently the distribution of ee. The distribution follows Wishart distribution and was
initially discovered by [18] . The distribution of a can be easily evaluated as follows [2].
Let R be an m x n (m > n) random matrix whose entries are CN(0, 1). The joint PDF
of the ordered random variables ¢ (defined in (3.15) for the eigenvalues of R¥R) is given by
Bla) = Kb o) T[0Tl = oo [ -0 G20
i=1 i<j i=1
where K - 1s a normalizing factor.

Using the distribution of a for the defined matrix R, the asymptotic outage bound is

P < /IP’(a)da
L (log p)" /Hp‘(m‘”“)aiﬂlp““ —p P exp {— Zp““] da (3.21)
i=1 i<j i=1
The simplification of the integral follows from [2]. The term outside the integral has

no effect on the exponent. The term |p~® — p~®i| is dominated by p~* at high SNR.
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We now divide the integration range into A" = ANRY and its complement. If a ¢ A,
the exponential term will dominate the other terms and will drive the integral to zero. If

a € A, the exponential term is approximately 1 at high SNR and will disappear. Therefore

Pout < / ﬁp‘(m‘"“)‘” [Tl =) dex

M i=1 1<j
- Hp—(%—l—i—m—n)ai da (322)
A i=1

where

A = {M(a) > M2 % — (M — N)*}

={ay>1,.., a5 >1,a541 >0,...ar >0} (3.23)

and S = [ (M 2731 —(M—N ﬁ)ﬂ . The integration region A" has boundaries that are parallel
to nonnegative orthant R, therefore the integration over multiple variables in (3.22) can be

separated:

n

P < ] / p~Gimtrmmmes qo (3.24)

=1,
_ p— ;9:1(2i—1+m—n)
= p S oy m = (3.25)
p~S*Hm=nIS) " for general m,n (3.26)
— p_dout

which establishes the proof of Lemma 3.3.1.

3.3.2 Outage Lower Bound

Lemma 3.3.2 For an MMSE MIMO system consisting of M transmit and N receive an-
tennas (and L = min{M, N} ), operating under quasi-static Rayleigh fading, we have

Pout(R, ]\47 N)}p*dout(R,M,N)
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where
R 2 R
dout(R, M, N) = {(MQM — (M~ N)*)ﬂ +|N — M| [(MQM (M- N)*)”L-‘.
Proof The lower bound is also based on Jensen’s inequality. Recall

M
Pos = B( 3 log(1+ 70) < )

k=1
M

:P(glogm <R>

1 — 1

> ]P’(Mlogﬂgm < R) (3.27)
Let the eigen decomposition of H?H be given by HYH = U” AU where U is unitary and A
is a diagonal matrix that has the eigenvalues of the Wishart matrix W on its diagonal. Let
the vector u; be the column £ of the matrix U and ug, be the element ¢ of this column, we

have
T+ oW = w/ (T+ pA) 'y

M
oy Ll
= 14 pAe

£ Sy (3.28)

Let k = argming Sy. Using (3.28), we can bound the sum in (3.27)

(3.29)

N (3.30)
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thus the outage bound in (3.27) can be further bounded using (3.29)

M
1 1
P = ]P’(Mlog— g —_ < R)
M~ T+ pW)g}

1
> ]P’(Mlogs— < R)
k

= IP><S,—c > 25}) (3.31)
We now bound (3.31) by conditioning on the event B £ {|ug|> > &} where a is a

positive real number that is slightly smaller than one, i.e. a =1 —¢, and € is a small positive

number. We then have

)
% i 1 +“W - 2—;}) (3.32)
)

_ (% ZL: L M - N)*) (3.33)

where (3.32) follows because P(B) is finite and independent of p; this can be proved similarly
o [7, Appendix A]. To make the upcoming expressions compact, we introduce a new variabe

k2 Mo—3i — (M — N)*

Mh

( e ,0)\@ ) (3.34)

Whenever M2 is non-integer, the constant a can be chosen such that ((M 2= —

(M — N)*)ﬂ = ((%2_% — (M — N)*)Jr-‘. We note this is satisfied for all rates, with the
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exception of an isolated set of points. As long as M 271 ¢ N we have:

- p< i 1 +1/W . W) (3.35)

The remaining steps follow similarly to the proof of Lemma 3.3.1. Thus P, > p~ % with

dyy 1s given by Lemma 3.3.2.

On the set of isolated points M2 € N, the right hand side of Eq. (3.35) obeys a slightly
weaker upper bound by replacing x with x 4+ 1. We can combine the cases where M 279 is

integer and non-integer to write the upper bound compactly as follows:
2
dout(R7M;N) S \‘(MQ_A}} + 1-— (M — N)+)+J + |N_ M‘ \‘(MQ_E + 1— (M . N)+)+J ‘

Inspection shows that this bound is tight against the lower bound everywhere except its
discontinuity points. In other words, the upper bound is left-continuous while the lower

bound was right-continuous at the discontinuity points.

3.4 PEP Analysis

Recalling that the diversity is roughly defined as the slope of PEP at high SNR, we now
proceed to bound the PEP tightly from both sides using the outage results already obtained.

3.4.1 PEP Upper Bound

We start by a lower bound that is inspired by [2, Lemma 5] but requires a more careful

treatment since we are analyzing rate, not the DMT (see the Introduction).

Lemma 3.4.1 For a quasi-static fading MIMO channel with MMSE receiver we have

dowt(R,M,N) > d(R, M, N).



23

Proof Denote E for an error event, and let x € C be the transmitted codeword from a

2Rl

codebook C of size where R and [ are code rate and code length respectively. Define

f = WHx that accounts for the combined effect of channel and equalizer. The transmit
messages are assumed equi-probable so the entropy H = log |C| = Rl. Applying the Fano

inequality [19]

_ RI-Ixylf=f) HEPE)f=])
PEIf=1) > Vi — i (3.36)

By defining Ds for any § > 0 as Ds = {f : I(x;y|f = f) < (R — §)}, and noting that
H(P(E)|f € Ds) < H(P(E)) from (3.36), we get

B(E|f € Dy) > L LOsYIf €Ds)  HP(E))

RI RI
d  H(P(E))
> .
R RI (3:37)
Also by using the definition of P,,; we have
P(f € Ds) = P(I(x;y) < (R —§)) = p~Tou(Fm0MN) (3.38)

For small enough values of 0 > 0, we have dy (R, M, N) = dyy (R—6, M, N) since dyy (R, M, N)
is left-continuous with respect to R. Hence, by invoking (3.37) and (3.38), the error proba-
bility is given by

]P)err(R7 M’ N) = ]P)(E|f € D(S)]P)(f € D5) + P(E|f ¢ D(S)]P)(f ¢ D&)

> P(E|f € Ds)P(f € Ds)

= pdout (3.39)

where we have used (% — m) = 1, which was derived in [15]. This establishes the proof

RI
of the PEP upper bound.

3.4.2 PEP Lower Bound

We begin by writing the error probability in terms of error event E and outage event O

P (R, M, N) = P(E|O) - Py + P(E, O)
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In Section 3.3.1 we have shown that, based on the event { SE 1+p/\k > M2 7 — (M —
+} the outage probability is upper bounded by P, <p~%w. Hence, the error probability

can be bounded as
Pe (R, M, N)<P(E|O) p~ % + P(E, O)
< p et +P(E,0) (3.40)

We intend to show that p~%u > P(E, O), and thus Pe,(R, M, N) < p~%u which produces

the following lemma.

Lemma 3.4.2 For a quasi-static fading MIMO channel with MMSE receiver we have

dowt(R, M,N) < d(R,M,N).

Proof We begin by giving a sketch of the proof then we proceed with the details. The
first part of the proof consists of developing a bound on PEP conditioned on H, namely
Plsy — s;]H = H]. To do this we obtain an upper bound of the variance of the SINR which
is expressed in terms of the eigenvalues of the Wishart matrix W, resulting in P[E|H =
H] < dexp(— (Zk L 1453:;@)2)_1)' The PEP is used to derive a conditional union bound
on error. We then divide the channel events into two sets based on the exponential order
of the eigenvalues: the set where M (a) = 0 and otherwise. We apply Bayes theorem on
the union bound using these two sets. The calculation of the terms of the Bayesian gives
P(E,0)<p ™MV L p~dout as desired.

We now proceed in detail. We want to compute the probability that the transmitted

symbol z(k) = s; is erroneously detected as z(k) = s;.

Recalling the equalizer output given by (3.6), define the noise-plus-interference signal
n=y—./px=,p(WH-I)x+ Wn (3.41)
Using the eigen-decomposition of H and noting that E(n) = 0 and E(nn’’) = I, we have

pa 2 E@) = p(WH-1) = —p2 (W + p ') 'x (3.42)
Ri 2 E(qn”) = (W +p ')t (3.43)
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Thus the variance of the noise sample 7n(k) is given by
oa(k) = Ra(k, k) — |ua (k)
=WHp Dy —p W+ p D) (3.44)

where |15 (k)|? is the k' diagonal of the matrix F(n)E (') and k counts from 1 to M.

5j—5]
[sj—si]’

By defining e; = the probability of erroneous detection for channel realization is

given by
P[Sl —>Sj|H = H]
P *
- P[Z"Sj —sif* < lejyly(k) — \/58l)|2‘H = H] (3.45)

< P|:§|Sj — si* < Ji]?

f — 1]

where the inequality holds since |e;(y(k) — /psi)| < |€f|[(y(k) — /psi)| = [(y(k) — /ps;)| =
(k)|

Denoting the real and imaginary parts of n(k) by 7,.(k) ~ N (u,(k),0%(k)) and 7;(k) ~
N (ui(k), o?(k)) respectively, we then have

{Sls; = si* < Ik}

p _ p "
 {Ljs; = s <linB)P}U{Lls; — il < [} (3.46)

Applying the property of the Gaussian tail function Q(z) < e=7"/2) for the pairwise error

probability, we obtain

C(LPsjsylmur (k)2 _ (LPsjsyltur (k)2 C(sjmsilmmi(k)?
o2 (k) o2 (k) o2 (k)
Plsy — sjH=H] <e +e +e
COLPlsj—sylui (k)2
o7 (k)
+e

C(flsj—syl—pr (k)2 s syl (k)2 C(fPlsj sl (k))?
o2 (k) o2 (k) o5 (k)
<e +e +e

( (4|sj—sl+ui(k>>2>
o2 (k)
+e " (3.47)
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where the last step holds as 02 (k) = 02(k) + 02(k) > o2(k), o?(k).

s ? 7

Now we proceed by showing that s;(k)< p% Consider the eigen decomposition of

W4 p 7 = UP[A + p_lI]_lU

=u” [dmg{ p= U (3.48)

where U is unitary matrix, and A is the eigen decomposition of W. Note that \y+p~'=p~ ! or

T <p. Therefore, all elements of the matrix =U”[A+p~'I]'U, being linear combination

of {)\k-l——p‘l}’ cannot grow faster than O(p), and thus the elements of +p2 [W+ p~1]~! cannot
grow faster than O(p%), Le. +us(k)< p? and therefore p2 + wa(k) = p2. The same result
holds for p,.(k) and p;(k).

As a result, for any s; and s, ‘/Tﬁ|sj — 51| £ p(k) = p2 + p,(k) = p2 and similarly
(

‘/T/3|sj — 51| £ (k) = p2. Thus from (3.47), we have

P

Plsy, — s;]H=H] < 4e %a® (3.49)

Now we bound the variance in (3.44) and apply it in (3.49)
L
Z { +p D — P_l(W*'P_lI)EIS}

k=1

L
Z{ ) 2
L+ phe (14 pAy)?

k=1

PP\
(14 pAg)?

(3.50)

=

Denoting the error event E and using (3.50), the probability of erroneous detection in

(3.49) is bounded as

_(EL 29 )71
PEH = H] < 4e FELAreag)? (3.51)
Applying the union bound, we get
PA -1
P(E|H = H)<2%e " (S e (3.52)
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Based on (3.52), we can evaluate P(E,O) in (3.40) as follows. Recalling the exponential

inequality

3

1 +1p>\k =D 1+ ! (3.53)

= M(a)+ max p !
( ) {ak:ak<1}p

= M(a) (3.54)

Consider the two regions: {a: M(a) =0} and {a : M () > 1}. At high SNR the event
O is equivalent to {a : M(a)<[M273r — (M — N)*+]}.

In the first region {M(c) = 0}, at any rate R > 0 we have {a : [M2 31 — (M —
N)T]=M () = 0 so there is no outage.

In the second region {M(a) > 1} the exponent order of the outage probability depends

on the rate. We investigate these two regions separately.

In the region {a : M (o) = 0}, we have maxy ay < 1 since all ajs < 1. From (3.52) and

(3.54) we conclude that

—1
— (maxkakfl)

P(E,O|M () = 0)<2fer

= QRle-ﬂ(l_max’““’“) (3.55)

Since exponential function dominates all polynomials and 1 — maxy o > 0, we get

—

pm o =0

which in turn yields
(lfmaxk D‘k)

<p MY (3.56)

P(E,O|M(a) = 0)<2fer

We next show that the same result holds for the other region {a : M () > 1}.
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Following the same line of argument as we did for (3.56) but for M (a) > 1, we have

—1
PA )

~ . _ L
P(E,OM(a) 2 1) < oFlL, (Zk:l GETSWE

_ 1y P )
g €2Rle (Zk 14+pA Ek (I:p)\k)Q)

1
>k g Tn?

(=) (20 72552)

1
— €2Rl 6_(Zk 1+P)\k)
N——— ™
<1 since M(a)>1

]

< €2Rle LM (ar)p— ™ing [T=og] (357)
. _pmink [1—ag]
. 1—max, o )y
< of k %k < p_MN (3.58)

where (3.57) is direct application of (3.54) for M(a) > 1, and (3.58) follows from the fact
that |1 — ax| = 1. Note that (3.58) is true for any code length [. Invoking the results of
(3.56) and (3.58), we can now evaluate P(E,C) as follows

P(E,0) = / P(E,O|M(a) = 0)P(c) dex + / P(E,O|M(a) > 1)P(a) dex

M(o)=0 M(a)>1
< p MY / P(a)da + p~ M / Pla) da (3.59)
M(c))=0 M(a)>1
= p MV (3.60)

Therefore, P(E, O)<p~™" for all regions of a. Finally, (3.40) becomes

P (R, M, N) < P(E|O) p~ % + P(E, O)
< p P +P(E,O)
ip—dm +p—MN
= pout

= P, (R, M,N) (3.61)

which establishes the lemma.
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From Lemma 3.4.1 and Lemma 3.4.2, we thus get

Theorem 3.4.3 For MMSE MIMO Receiver under quasi-static channel and joint spatial
encoding, the pairwise error probability (PEP) and the outage probability Py, are exponen-
tially equal and the diversity gain is d(R, M,N) = dou(R, M, N), where dy, (R, M, N) 1is
giwen in (3.11).

3.5 Multiple-Access Channel (MAC)

We now extend the result to the MAC channel. Consider a MIMO MAC channel with K
users, M transmit antennas per user, N receive antennas (there is no condition on M, N and

k). Assume flat fading MIMO channel, the system model is given by

K
y = Z Hx, +n=HX+n (3.62)

i=1
where H; € CV*M is the user ¢ channel matrix whose entries are independent and identically
distributed complex Gaussian, Ho = [H H, ... Hg| is the overall equivalent channel matrix,
x; € C M*1ig the transmitted vector of user i, X = [x]1xJ ...x%]7 is the overall transmitted
vector, and n € C V! is the Gaussian noise vector. The vectors X and n are assumed

independent. We keep the same assumptions about the channel. That is we assume a quasi-

static flat fading channel and perfect CSIR and no CSIT. We have the following theorem

Theorem 3.5.1 In a MIMO MAC system with MMSE receiver consisting of K users, M

transmit antennas per user and N receive antennas, the lower and upper bounds on the per
user diversity are respectively given by dMAC(R) and dMA°(R),

2AC(R) — MMQ—R/M (M- N)ﬂﬂ L N — K M| [(MTR/M — (M - NV)ﬂ

(3.63)

dMAC(R) = [(KMz—R/KM — (M — N)*)ﬂ +|N - KM| [(KMz—R/KM — (M — N)ﬂﬂ .

(3.64)
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From (3.63) it is straightforward to verify the single user case. The machinery of the
proof is mostly similar to the single user case. However, the outage upper and lower bounds
are obtained in a different manner that is pointed out in the following analysis for N > M.

The case N < M can be similarly obtained.

3.5.1 MAC Outage Upper Bound

The user ¢ outage probability can be written as

iM
P = IP’( > log(l+74) < R). (3.65)
k

=(i—1)M+1

where 7% is the SINR of the stream k of user i. Specializing this to MMSE receiver we get

iM
Pl = IP’( > log(I+ pH He) ! > —R>. (3.66)
k=(i—1)M+1

Using Jensen’s Inequality the outage probability can be bounded as

M

‘ 1 —R
Pouy <P(log( D, -(I+pHHe)) > —7)
k=(i—1)M+1
— 1 ~R
< P(log (; 57T+ pHHe) ) > =) (3.67)
KM 1 R
=P() o M2r) (3.68)

where (3.67) is true since the summation in the left-hand side of the inequality adds more
positive terms (recall that (I+ pH.”H,) is a positive definite matrix [17]). Following similar
steps that were used to obtain (3.26) we can easily show that Pi < p~%"° where d¥'AC is

out
given by (3.63).
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3.5.2 MAC Outage Lower Bound

The outage probability can be lower bounded as follows

M
Pl = 1@( > log(I+pHHe),)! > —R)
k

=(i—1)M+1
KM
> ]P’(Z log(T + pH 7 H,);! > —R) (3.69)
k=1
KM
. . KM _-n
> P<;(I + pHHL) ! > ——27 > (3.70)

where (3.69) is a trivial bound based on dedicating all K M antennas to one user, and (3.70)
uses the same technique as in Section 3.3.2, and «a is a positive number slightly less than one.
_dII\J/IAC

Following similar steps that were used to obtain (3.26) we can easily show that P? > p ,

out
where dMAC is given by (3.64).

3.6 Simulation Results

Simulations generate Monte Carlo random channel realizations and calculate outage proba-
bility by checking the appropriate linear MIMO receiver mutual information for the quasi-
static flat fading model. Figure 3.3 shows the case M = N = 3. According to Theorem 3.4.3,
Aot = 1 for R > 4.755, dyyy = 4 for 4.755 > R > 1.755, and d,y; = 9 for R < 1.7549. Fig-
ure 3.3 shows the diversity step between R = 4.5 and 4.8bps/Hz. The slope of diversity 9 is
difficult to measure precisely with simulations, but it is approximately observed. Figure 3.4
shows the outage probability for R = 1,4 and 10 with the Jensen bound, with a diversity
transition at R = 2. Figure 3.5 shows the case of M = 2, and N = 3 again with transition
at R = 2. In Figure 3.6, simulations results for N = 2 and M = 3 are given and compared
with N = 3 and M = 2. Theorem 3.4.3 gives the diversity for both systems. It is observed
that when N > M the break point of the slopes occurs before its counterparts in M > N

case. Lower rates were difficult to simulate precisely.



32

2

=

©

Q

o

o

(]

(@]

8

S

o10° ¢t -
10710 | |

Rates (left to right): 1, 1.5, 2, 3, 4.5, 4.8, 5, 10
10_12 I I I I I I I
0 5 10 15 20 25 30 35 40

SNR (dB)

Figure 3.3. Outage probability of MMSE Receiver, M = N = 3 for R=1, 1.5, 2, 3, 4.5, 4.8,
5, 10 bps/Hz
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Figure 3.4. Outage probability of MMSE Receiver, M = N = 2 for R (left to right)= 1, 4,
10 bps/Hz
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Figure 3.5. Outage probability of MMSE Receiver, M = 2, and N = 3 for R (left to right)=
1.5, 2.5, 4 bps/Hz
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Figure 3.6. Outage probability of MMSE Receiver for both cases N > M (solid) and M > N
(dashed). The spectral efficiency R (left to right)= 1.8, 4, and 10 bps/Hz
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3.7 Conclusion

This chapter settles the long standing problem of the diversity of the MMSE MIMO receivers
under all fixed rates for any number of transmit (M) and receive (N) antennas, giving the
result as d = [M2737 — 5|2+ |N — M|[M273 — k], where & = max(0, M — N). The analysis
confirms the earlier approximate results [6, 7] showing that the system diversity can be as
high as M N for low spectral efficiency and as low as N — M + 1 for high spectral efficiency.
The result is easily extended to the multiple access channel (MAC).



CHAPTER 4
LINEAR RECEIVERS IN MIMO FREQUENCY-SELECTIVE CHANNEL

4.1 Frequency-Selective Channel
4.2 Introduction

Broadband wireless systems usually operate in frequency-selective channels where, in addi-
tion to the spatial diversity obtained in MIMO broadband systems, frequency diversity can
be achieved. Broadband systems usually employ orthogonal frequency division multiplexing
(OFDM) or single carrier (SC) transmission [20]. Specifically, SC was shown to be attractive
for broadband wireless channels due to its lower complexity, lower peak-to-average power

ratio and reduced sensitivity to carrier frequency errors compared to OFDM [20, 21].

In this section, we investigate the diversity achieved by SC-MMSE receivers for two block
transmission schemes, namely cyclic prefix (CP) and zero-padding (ZP) schemes. The CP
and ZP are commonly used for guard intervals in block quasi-static channels. Although CP
was initially proposed for both single carrier and multi-carrier systems, ZP was lately shown

to be an attractive alternative for both systems [22,23].

4.2.1 System Model

We consider a general MIMO system in a rich scattering quasi-static environment. The
equivalent baseband channel is given by multipath model with v paths referred to as the
ISI channel in the sequel. The (v + 1)-tap channel impulse response between the transmit
antenna m and receive antenna n is denoted by the vector Wy, = [Rmn0s Pmn1s - - - s Pmnw)-
We assume a block-fading model where h,,,,, remains unchanged during a transmission block.

Assuming M transmit and N receive antennas, the received vector y;, at time instant k is

35
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given by [15,24]

Ye = Z H;x,—i + 1y (4.1)

i=0
where H; is the M x N channel matrix that has h,,,; as its (m,n) element, x;_; is M x 1

transmitted vector at time index k — i, y, is the N x 1 received vector and ny is the N x 1

Gaussian noise vector at time index k.

Consider a transmission of L; + L. spatial vectors each of size M x 1, where Ly is an
integer representing the number of transmissions over the quasi-static channel and L. is
the length of data extension to avoid inter-block interference, in the form of either zero-
padding or cyclic prefix. The receiver discards the L. vectors in the case of cyclic-prefix
transmission [24]. Stacking the transmitted vector in an M (Lg+ L.) X 1 vector, we can write

the stacked M (L4 + L.) x 1 transmitted as follows

_ T T
Xp = [Xk(Ld-i-Le)v ce ’Xk(Ld+Le)+Ld+Le—1]

We can then rewrite (4.1) as
Yoo =HX+n (4.2)
where y., is the NL; x 1 received vector, X is the M(L; + L.) x 1 transmitted vector, n is

the white Gaussian noise vector € C N¢*! and H is the channel matrix given by

H, H --- H 0 --- 0

B 0O H, H; --- H, --- 0

H-= (4.3)
O -+ --- Hy H, --- H,

The linear data extension operation maps the data vector x to the transmitted vector x

and is shown by

% = Ugpk (4.4)

where Ugy, is given by
1
Uep = M (4.5)
Lyr. OnLex(Ly—Lo)M
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The system model in (4.2) can now be written in terms of the unpadded data vector x and

an equivalent channel matrix H, as follows
Voo =Hex+n (4.6)
where in a CP system, H, = HU,, is a NLy x M L, block circulant matrix constructed by

block circulations of the matrix [Hy, Hy, ..., H,,0,...,0]T.

For the zero-padding transmission, we can rewrite (4.1) as
y.p =Hex+n (4.7)

where y,, is the N(Ly + L.) x 1 received vector, X is the M L, x 1 transmitted vector, n is

Ld+Le)>< 1

the white Gaussian noise vector € CN( and H is the channel matrix given by

H 0 --- 0
H,
H. = H, H, (4 8)
0 H,
H,

Assuming perfect channel state information at the receiver (CSIR) and that the channel
remains unchanged during the transmission of L; + L. vectors, the MMSE equalizer W is
applied to decouple the received streams (after removing the L. extension vectors in case of

cyclic-prefix transmission). The MMSE equalizer is given by
W= (p 1+ HH,) "H." (4.9)

and the unbiased decision-point SINRs of the equalizers output for detecting the k trans-

mitted stream are

1
I+ pHeHHe)lzkl -

In the following sections we analyze the outage diversity for the ZP and CP systems. The

PEP analysis follows in a direct manner as in the flat fading case so we omit it.
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4.2.2 The Zero Padding MMSE Receiver

It is known that in a point-to-point single-antenna ISI channel, linear receivers can achieve
full multipath diversity under zero-padding transmission [23,25,26]. In this section we inves-
tigate the similar question for MIMO systems whose receivers use linear MMSE operations in
both the spatial and temporal dimensions. We provide lower and upper bounds on diversity.

The bounds are not always tight, but the diversity is fully characterized for SIMO systems.

We begin by analyzing the tradeoff between the spectral efficiency R and the diversity of
MMSE receiver in the single-antenna ISI channel d7f ¢ under ZP transmission. Tajer et
al [15] shows that d91 ¢ varies with R under CP transmission and MMSE equalization, in
particular, for a quasi-static single-antenna ISI channel with v + 1 taps, the diversity of the
SC-MMSE receiver under CP transmission is d§/,;sz = 1+min(v, [27%L4]), where L, is the

transmission data block length. We show that the same is not true for ZP transmission.

Lemma 4.2.1 For a quasi-static single-antenna ISI channel with v + 1 taps, the diversity

of the SC-MMSE receiver under ZP transmission is difysp = v + 1 irrespective of R.

Proof See Appendix 4.3.1.

We proceed with lower and upper bounds on diversity for MIMO ISI channel.

Diversity Upper Bound

Applying the MMSE equalizer given by (4.9) to the received vector in (4.6), the effective
mutual information between x and Wy is equal to the sum of mutual information of their

components [12]
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Thus the outage probability is given by

| ML
Pt = P(L—d Z log(1+ %) < R> (4.11)
k=1
| MLa ]
= ]P’(— log — < R> (4.12)
Ly ; I+ pH.TH,),}!
MLy 1
> ]P’(M log — < R) (4.13)
MLy, ; I+ pHH,),}!

where we have used Jensen’s inequality as in Section 3.3.2. Let the eigen decomposition of
H.”H, be given by H"H, = U”AU where U is unitary and A is a diagonal matrix that
has the eigenvalues of the matrix H.”H, on its diagonal. Let the eigenvalues of H.”H, be
given by {A\;} with Ay > Ao -+ > Ay, Let the vector ug be the column £ of the matrix U,
we have

I+ PHeHHe)Ekl = ukH(I + PA)_luk

MLy

oy el
= 14 pAe
2 S,

Let k = arg ming Sy,. we can bound the sum in (4.13)

MLg MLy

1

S T TR E
MLd p (I+pHeHHe);;kl MLd = Sk
1

~ .
miny, S,

1
= — 4.14
5 (414

thus the outage bound in (4.13) can be further bounded

M

1 1
P >P( Mo <R
t ( ° ML, ,; (I+ pH"He) ;) )

21[”(Mlogsi < R)
k

= IP(S,; > 2—5?) (4.15)
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We now bound (4.15) by conditioning on the event

where a is a positive real number that is slightly smaller than one a =1 — €1, and ¢, is a

small positive number. We then have

Py = ]P’(Sk > 2—ﬁ>

> IP’(Sk > 27 \B)P(B)
MLy |U 12
=P > o= B)IP’ B
< ; 1+ p)\g ‘ ( )
MLy ]u )
> IP( > th ~r B)IP’(B) (4.17)
(=MLy—M-+1 L+ pAe
1 ML a
> IP(— > > 253)1@(3)
M (=MLy—M+1 L+ pAe
1 ML a
M 0=MLs—M+1 L+ oA
MLy
1 M
= IF’( > > —z—ﬁ) (4.19)
0=MLy—M+1 TP a

where (4.17) follows by removing some of the elements of the sum corresponding to the
largest eigenvalues. The steps used to obtain Eq. (4.18) are similar to the steps used in

Section 3.3.2.

Note that HoZH, is not a Wishart matrix, hence the analysis of Section 3.2 does not
directly apply here. The block diagonal elements of HeH, are similar and are given by
D=> HH, (4.20)
i=0
The matrix H,”H, is Toeplitz and Hermitian. Moreover, the matrix D given by (4.20)

is a Wishart matrix!.

! Let W(n, ") denote a Wishart distribution with degree of freedom n and covariance
(also called scale) matrix ) . Any of the diagonal block matrices D; given by (4.20) follows
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Observe that the probability in (4.19) depends on the M smallest eigenvalues. We now
bound these eigenvalues with the eigenvalues of the matrix D via the Sturmian separation

theorem [27, P.1077].

Theorem 4.2.2 (Sturmian Separation Theorem) Let {A,,r = 1,2,...} be a sequence of
symmetric r X r matrices such that each A, is a submatriz of A, 1. Then if {\(A,), k=

1,...,7} denote the ordered eigenvalues of each matriz A, in descending order, we have

M1 (Ai1) < Ae(A) < Ak(Aipa).

For our purposes, we consider a special case of the Sturmian Theorem by constructing
a set of matrices Ay, Apria, ..., Ap, v starting by the largest one Ay = H.”H, and
making all other matrices A; to be (successively embedded) ¢ x ¢ principal submatrices of
H.”"H,, such that the smallest matrix is A,; = Dy, .- Then we repeatedly apply the first

inequality in the Sturmian to get:

Avny(Anny) < Avpg—1(Ann,—1) < - < Au(Apy)

Aing—1(Anr,) < Avny—2(Anr,-1) < - < Ay—1(Anr)

Aving—m+1(Anr,) < Avng-—m(Apn,—1)< - < Ai(An)
This implies that the smallest M eigenvalues of HeH, are bounded above by the M eigen-
values of D, respectively. Hence:

. 1 M R
Pyoi= P —_—— > —2TM), 4.21
! (gl—i-p)\k(D) - a M) ( )

D is a sum of (v + 1) central Wishart matrices each with N degrees of freedom and with
identity covariance matrix, i.e. D € W((v + 1)N, I). Therefore the analysis of Section 3.2
applies here and we have the following lemma.

a Wishart distribution since if By € W(nq,Y_) and By € W(ng, >_) then By +By € W(n; +
na, Z)
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Lemma 4.2.3 In a MIMO quasi-static frequency-selective system (with channel memory v)
consisting of M transmit and N receive antennas, the MMSE receiver diversity under joint

spatial encoding and zero-padding transmission is upper bounded as
2
d?? < {(Mz—ﬁ +1— (M- N)+)*J +|N - M| L(MQ‘A}} +1— (M- N)+)*J (4.22)

where N = (v + 1)N.

Diversity Lower Bound

We can upper bound the outage probability as follows.

| MLa
P, = IP’(L— Z log(1 4 ) < R)
d =1

1 MLy
— P(L—d Z log(I + pH"H,)! > —R)

MLd

IP(M log - > I+ pHMHe)yy! > —R) (4.23)
k=1
MLd
IP’(MI I+pH TH,) ! > R)
MLy
R
= ]P’( > M2M>
1 1 —i—p)\k H H )
M R
<P + LgM — M > M2~ 4.24
<; 1 +,0)\k (HH,) ) 429
al 1 %
=P > M2 % — (MLy— M 4.25
<,§ 1+ pAy(HTH,) (ML )) (4:29)

where (4.23) follows from Jensen’s inequality and (4.24) follows from setting the smallest

L4M — M eigenvalues to zero.
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Now we repeatedly use the second inequality in the Sturmian theorem to get

A(Apr) <o < Au(Anry,—1) < Am(Anry)

A—1(Ay) << Ay—1(Anpy—1) < Au-1(Awry,)

A (Ap)

IN

< M(Anry,—1) < M(Awr,)

with Ayrr, = H.”"H, and A, = D, similar to the earlier case. Therefore the largest M

eigenvalues of Hy” H, are bounded below by the M eigenvalues of D, respectively. Therefore
1 — 1

P,u< P(Mlog =y Q). (4.26)

where @ = max (0, M2 31 — (MLg— M)). Recall that D is a Wishart matrix, therefore the

analysis of Section 3.2 follows and we obtain the following lemma.

Lemma 4.2.4 In a MIMO quasi-static frequency-selective system (with channel memory
v) consisting of M transmit and N receive antennas, the MMSE receiver diversity is lower

bounded as
" = [Q]" + | + )N — M|[Q] (4.27)
under joint spatial encoding and zero-padding transmission. () = max (0, M2~ — (MLg—

M)).

Remark 4.2.1 Notice that both lower and upper bounds differ only in the second term of
Q, i.e. (MLp— M). The diversity lower bound for Lq =1 is tight against the upper bound,
but for Lqg > 1 the lower bound (4.27) is trivial.

4.2.3 The Cyclic Prefix MMSE Receiver

For the single-antenna ISI channel under CP transmission, the explicit tradeoff between

spectral efficiency and diversity was found [15] to be dS/ ;g5 = 1+ min(v, |2 %Ly]). In this
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Figure 4.1. Single-carrier block transmission in a frequency-selective channel. In the case of
CP, the extension is removed at the receiver prior to equalization.

section, we extend the analysis to the MIMO case. The system model is shown in Figure 4.1.

We start with the general M x N MIMO system.

The system model is again given by (4.6) where H, = HUy,,, and x is generated by taking
the IDFT of the information vector x [28], i.e.

x=Q¥ x (4.28)

where Qr, is the augmented DFT matrix given by Q7, = Q ® I;, where I,; is the identity

matrix, Q is the normalized DFT matrix, and ® is the Kroenecker product.

The NLy x MLy block-circulant matrix H, has eigen decomposition H, = Q¥ AQr,,
where Qgr, = Q ® Iy. Both Qr, and Qg, are unitary matrices. The block diagonal matrix
A is given by

A= _ (4.29)

where the matrix By, is given by [29]

27i(k—1)

B, = ZHie_J Lq fork=1,...,Lq (4.30)
i=0
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and H; is the instantanecous MIMO channel (cf. Section 4.2.1).

Analogous to the proof of [15], we first consider the case where the transmission data-
block length is equal to the number of channel taps, i.e. Ly = v+ 1. In this case, the entries

of By's are i.i.d. normal complex Gaussian.

Outage upper bound

The outage probability of the MMSE receiver is given by

1

lo
Ly 4 S Ty L,

out

)_1) < R) (4.31)

log I+ pH"H,);}}) > R)

MLd

MLy
M log Z i Ld(I +pATA) > —R) (4.33)

ML,
=P( > (I+pA"A)} > MLs2" M>
k=1

(52
(i3
S ST TR R
==
(%
e

= P( Z > (1+—;Ak) > MLd2£’2> (4.34)

Where (4.32) follows from Jensen’s inequality, (4.33) follows from the eigen decomposition

of He, and Ay ; is k-th eigenvalue of the ¢-th Wishart matrix BB,.
Recall from Section 3.3 that the eigenvalues of a Wishart matrix have the asymptotic

property

M
S e (439
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based on which we established in Lemmas 3.3.1 and 3.3.2 the following

i —(s2+|N—M|s) 436
kz - +pAk p (4.36)

where «y, is defined in (3.15) and s, M, and N are arbitrary integers. Define

6= > 1

ag,i>1
0; are i.i.d. discrete random variables with the following asymptotic distribution (cf. Sec-

tion 3.3, Equations (3.22)-(3.26))
P(0; = n;) = p~ CIHIN=MI - for =1 M (4.37)

Using (4.36), the outage probability in (4.34) can be evaluated as

P(ZZ (14 pAri) > MLa2 M>

= P( Z 6; > Q) (4.38)

where Q = [M Ld2*%] Evaluating the probability in (4.38) in a combinatorial manner, we

get
Lqg Lg
(D 0:>0) =P(3 6:=0)
i=1 i=1
= Z p—(n%ﬂN—Mlnl) N .p—(n;%HN—M\nLd) (4.39)
Nn1,M2,.-NL,
- max pf(n§+|NfM|n1) o p—(n%d-i-\N—MWLd) (440)

where n; € [0, M] for (i = 1,2,...,Ly) is the value of the i-th discrete random variable 6;,
and (4.40) is true since the summation in (4.39) is dominated by the maximum element.
Let the set {n},k =1,..., Ly} be the set of indices of the optimal solution of (4.40). The

set {n;} is obtained by solving the following optimization problem

Ly
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Lq
subject to an =
k=1
or equivalently,
Ly
min Y n; (4.41)
mnenLy

Ly
subject to an =Q

k=1

The problem in (4.41) is a quadratic integer-programming (QIP) problem (see e.g. [30]
). Integer programming problems are in general NP-hard. However, due to the simple
structure of the objective function in (4.41), we can efficiently solve it, thus obtain a closed

form expression for {n;} and hence (4.40).

Lemma 4.2.5 For the QIP given by (4.41), the optimum solution is given by:

n: =u forl<i<t

n;=u+1l fort+1<j< Ly

where u = LL%J andt = Lg(u+1) — Q.
Proof See Appendiz 4.3.2

Using Lemma 4.2.5, we can now evaluate the outage upper bound given by (4.40) as
Pyt < p~er (4.42)

where do, = Q2u+1) —uLlg(u+ 1)+ [N — M|Q and u = LL%J
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Outage lower bound

The bound is obtained using the same steps to obtain the lower bound in Section 4.2.2. It

can be shown that

ML,
1
P = P(L— > log((I+ pHe"He);!) > —R) (4.43)
d j=1
Lqg M
. 1 R
> P S MLg2 4.44
(;;(1+P)\k,i) e M) (4.44)

The bound in (4.44) is the same as the upper bound in (4.34), thus the bound is tight and

the diversity is given by (4.42). The PEP analysis follows in a manner similar to Section 3.4.

Recall that so far we have considered data block length L; = v + 1. It can be shown
that the diversity for any Ly > v 4 1 is upper bounded by the computed diversity for the
case Ly = v + 1. This bounding is derived from (4.33) via FFT arguments similar to those
used in [15], which we omit for brevity. A tight diversity lower bound for data block lengths
Ly > v+ 1 remains an open problem, except for the SIMO system as discussed in the next

section.

Diversity of CP Transmission in the SIMO Channel

Theorem 4.2.6 In a SIMO quasi-static frequency-selective channel with memory v, N re-
ceive antennas and data-block length Lg, the MMSE receiver diversity is d$f s = N min(v+

1, |27 8Lg| + 1) under joint spatial encoding and cyclic prefiz transmission.

In order to prove Theorem 4.2.6, we first analyze the case of Ly = v+1 and then generalize
the result for Ly > v+ 1. The system model is given by (4.6) where the N Ly x L4 equivalent

channel matrix is given by

hg hy - h, 0 - 0

0 hg hy -+ h, --- 0
Ho=1. . .| (4.45)
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where h; (for i = 0,1,...,v) is N x 1 SIMO channel. Note that the diagonal elements of
(He"H,) are identical and equal to Y hfh,. Thus the MMSE SINR for each output

information stream is

1 1
= —1= —1 4.46
e (I -+ HeHHe)kk letl"(:[ -+ HeHHe)kk ( )

Evaluating the outage probability as in (4.31)

o < R) (4.47)

Ly 1 .
= JP(Z W) > L2 ) (4.48)

where (4.47) follows from (4.46) and (4.48) follows similarly to (4.34).

In a manner similar to (4.34) we have \;, = BB, because now B is simply a N x 1
vector. For the case Ly = v + 1, the eigenvalues {\} are distributed according to Gamma
distribution with shape parameter N and scale parameter 1,1i.e. A\, ~ ['(N,1). For Ly > v+1
the Gaussian variables in By are no longer independent and thus analyzing this case requires
the unknown distribution {\;}. Instead, we indirectly show that the diversity of Ly = v+ 1
also holds for Ly > v + 1.

Lemma 4.2.7 In a SIMO quasi-static frequency-selective channel with memory v, N re-
ceiwe antennas and data-block length Ly = v + 1, the MMSE receiver diversity is dSfy;sp =

N(|Lg27 %] + 1) under joint spatial encoding and cyclic prefiz transmission.

Proof The outage probability can be written as

Lg
— 1 -R
Pout—P(kZ:;(1+p>\k) > L2 )

= P(M(a) > Ls27") (4.49)
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where we use M(a) = > 1 from (4.35). We thus need to evaluate P(aw > 1). The

ap>1

probability density function of Ay is
1 N—-1 -z
(@) = ——=a" e (4.50)

The distribution of «y is thus given by

Jor(@) = %N) p~ e In % (4.51)

The cumulative distribution function of ay, is

= /x far(y) dy

= / rNte T dr (4.52)
P

N x
= —1 (/OO rN e dr — /p_z ererr) (4.53)
N 0 0
N
- (4.54)
k=0

where we have made a change of variables r = p~ in (4.52), and evaluate the integral

according to [27, P.334 and P.336]. Thus we have

N—-1 _k
Plag>1)=1—¢" pk;_'
k=0
. I
=1-(1- ~i? ) (4.55)
=p N (4.56)

where (4.55) follows from the Taylor expansion for (4.54).

From the independence of {\;}, and subsequently the independence of {ay}, we conclude

that M(a) in (4.49) is binomially distributed with parameter p=. Hence, similar to [15],
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we have

Lq
1
P L2~ B) =P(M L2~k
(e, > me™) =pt@) > 227

Ly

= > P(M(a)=1i)
i=|Lq2~B|+1
i=La2-B]+1 \ ©

- p—N(LLdTRJ-H).

which concludes the proof for Ly =v +1
For Ly > v + 1 we follow steps similar to [15].

Lemma 4.2.8 Consider two SIMO systems both operating under quasi-static frequency-
selective channels with memory v. One system has data block length Ly, > v + 1 and

the other Lq, > Lg,, we have the following property

for any m € R.

Proof The proof has similarities with the SISO case developed in [15, Lemma 2], but is not

a trivial extension (see Appendix 4.3.3).

Using Lemma 4.2.8 and the results in [15, Theorem 2], Theorem 4.2.6 is established.

4.3 Appendix

4.3.1 Proof of Lemma 4.2.1

Consider a single-antenna ISI channel h = [hy,. .., h,], where v is channel memory. The

transmitter sends a block of L, 4+ v symbols (i.e. the extension L. = v), the last v symbols



52

of which are zeros to remove the inter-block interference. The system model is given by
y = Hex +n (457)

where x is the transmitted length-(L; + v) vector. We consider the case where the padding
length is equal to the memory of the channel. The results are also valid for L, > v as a

direct result of [15, Theorem 2].

The outage probability of MMSE receiver under ZP transmission is given by [15]

1 & 1
P =P S onr ) <
L
< P(Lid kzdllog(l + M) < R) (4.58)
< P(log Lid i %(HeHHe)kkl > —R) (4.59)
-

where (4.58) represents the outage probability of zero-forcing equalizer which upper bounds

that of the MMSE. The bound in (4.59) follows from Jensen’s inequality.

We want to show that tr(H."H,)™! in (4.60) is proportional to ||h||~2. Thus it is

straightforward to obtain full-diversity at any R since [2]
P(cIbl? < p=)=p~Le (4.61)

where ¢ is a constant that is independent of h.

To show that this is indeed the case, we use the result of Tepedelenlioglu [25,31] which
provides a family of linear zero-forcing equalizers that is capable of achieving full multipath
diversity in zero-padded systems under certain constraints. We paraphrase the result for

convenience.

Lemma 4.3.1 ( [25,31]) Under zero-padded transmission, there exists a family of left-
inverses of He, denoted by G, such that ||G||72 > C||h||?* for some constant C' independent
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of the channel vector h. Moreover, we have ||W zp|| < ||Gl], for any G satisfying GHe =1,
and Wz s given by
Wyr = (HAH,) THLE. (4.62)

Applying the ZF equalizer Wz on the channel output given by (4.57) we get the equal-
ized signal y = x + z, where z = Wzpn. The filtered noise power P, can be evaluated

as

P, = E tr[zz"]
= tr[E((He"He) 'He'nn"He (Ho"He) )]
= tr[(HHe) ™! (4.63)
where we assume the noise is uncorrelated and has variance equal to one.

Using the properties of the Frobenius norm, P, can be bounded as

P. = E(|[W.nl)

< E([[Wer[[*[In][*) = Lal W[ [*. (4.64)

Using (4.63), (4.64) and Lemma 4.3.1, the trace in (4.60) can be bounded by

Lq
tr[(He"He) '] < Ly||[Wos|* € . (4.65)
T Ol
Thus from (4.60) we have
Pout < IEI>(C’2||h||2 < P_l)
s ), (4.66)

where Cy = C' 27 % is a constant independent of h and p.

Note that the constraints and construction methods in [25,31] for the zero-forcing equal-
izers to achieve full multipath diversity in ZP systems do not apply in CP systems. That is,
Lemma 4.3.1 is not true for CP transmission. This is because the equivalent channel in CP

systems does not have the same properties that were used in [25,31].
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4.3.2 Proof of Lemma 4.2.5:(QIP Problem)

Consider the following Quadratic Integer Programming (QIP) problem
i ; 4.67
min Z nj (4.67)

¢
subject to an =0
k=1

where € and ¢ are integers.

Consider a candidate solution vector [nq,...,ng,...,ny. We partition the variables in
this vector according to their values into  + 1 sets /\f] ={ng:np =j}for0 <y <
clearly some of these sets may be empty. Denote the membership of each set S; = |N].
Furthermore, let 2 = mf + K where m is the divisor and K is the remainder of the division
of Q by ¢. From the constraint in (4.67) we have

14 Q Q
Y =Y jS;=ml+ ) (j—m)S;=ml+K. (4.68)
k=1 j=

7=0 7=0

Evaluating the objective function:

k=1 =0
Q Q
= m* +2my (j—m)S;+ Y (j —m)’S,
=0 =0
Q
= (m® +2mK + Y (j —m)>S, (4.69)
=0
Q
> (m® + 2mK + Z(] —m)S; (4.70)
=0
=(m*+2mK + K (4.71)

where (4.69) and (4.71) use 3 ((j — m)S; = K, which follows from (4.68).
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We now propose that one may achieve optimality when all variables take values either m

or m + 1. In that case,
an =mSy, +(m+1)({ —S,)=ml+ ({—5,)
k
Zn% =m?Sp, + (m+ 120 — S,) = tm? +2mK + K.
k

where we substituted the value of ¢ — S, from the first equation into the second equation
above. This shows that the variables taking values m or m + 1 achieves the lower bound

in (4.71). At optimality S, = (m + 1)¢ — Q.

4.3.3 Proof of Lemma 4.2.8

We begin by showing that for any integer multiplier of Ly, = v + 1 denoted by L4, = T Ly,

(T € N) and any real-valued m € (0, Ly, ), we have

q=1 q=1
Note that for SIMO-CP system, A\, = bqu, where b, is the N x 1 vector given by

_:2m(g—1)

b((]i):Zhnej La, forqzl,.--,Ld
n=0

(4.73)

7

where h,, is the channel gain as a function of the tap index n, and the superscript ¢ = 1,2 is

used to distinguish the variables in two systems with data block lengths Ly, and Lg,.
Recall that we can take a Lg,-point signal and apply a Lg,-point DFT on it (after zero-

padding), which will result in a resampling in the Fourier domain at Lg, points. Following [15]

we can write the explicit relationship between entries of b and b® as

Ld1
o) => "0 q=1,2... Lg, and 1 =1,2,...,N. (4.74)
=1
where
_ '(qfl)QTrLdl
5 1 1—e ' Ta
i Ld1 - e*j(Qﬂ[(,(;;l)*?WIE;:l)) .
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i log [b.") |2 1 2 2
Define a;; = TI Note that b(T()qfl)’l = bé’l) and agﬂ()qfl) = a for qg=1,2..., Ly
since Lg, = T'Lg, . From (4.74), we have
Lay Lay
Z ‘wl| |bzl |2 + Zzwlws 0 sl ' (475>
=1 s=1
s, n

We now analyze each part of the sum in (4.75). For the set of indices A £ {i : i =
T(k—1)+1,k=1,...,Lg}, the coefficients {1} are non-zero constants, then |¢i|2|b§i) K
|b§3)|2 Vi. Noting that 1 must be real-valued, and defining a,, £ lffg|z|, Eq. (4.75) can be
written as

in; oM
=p MY 4 ip*an. (4.76)

Note that if < 0 the second term in (4.76) should be smaller than the first term

since otherwise the right-hand side of (4.76) will be negative while the left-hand side is

L. . i (1)
positive. Thus for n < 0 we have «,, > min; ozg_ll). Also, for a > 0 we have p- YL 4

— min; a

|—;"p*°‘">p7mm’ %0, Thus we always have p~ ™" %t + %p*a’?>p , leading to the

following lemma.

o®L —min;a¥ ,
Lemma 4.3.2 For a(l anda , defined above we have: p~ %l Z>p~ MYl = a((fl) < min agll)

forq e A.

We now partition the DFT points into two sets A = {T(i — 1)+ 1,i = 1,..., Ly } and
B=A{1,...,Le, }\{T(i —1)+1,i=1,...,Lys } We now define the event:

D2 {minaz(’ll) <1, m'inaz%) <1l,..., minag}zz, <1}
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and proceed to evaluate the probability

La, Lay
1 1
]P’(Z—>m):IP’<Z — >m) (4.77)
£ (14 pA) =L
1 1
_ p(z £y > m)
Al |bt(;l)|2 s L+ |b((;l)|2

= IP’(51 +5, > m> (4.78)

where (4.77) follows since A, = bl'b, and S; and S are given by

La,
1

A
Sl - Z N 1704(1)
=1 1+ Zl:1 JZ

52 1 -

qeB 1+ ZZZL pliaq‘l

We now evaluate (4.78)

P(51+52 >m) :P(Sl+52 >m ‘ D) x P(D) +IP’<51+82 >m ‘ 15) x P(D) (4.79)

Note that subject to the event D, we have
1

Szzz 5 =0

qeB 1+ le\il Plia‘”

Therefore this term can be asymptotically ignored. Also subject to D, we have

La, .
Sy = Z N 1-a® = Ld1
=1 L+, p e

and since with probability one, Ly, > m, the other (non-negative) term can be asymptotically

ignored. Thus, both the terms involving the set B can be altogether ignored and we have:

P(§ m > m) - 11»(51 > m|D>IF’(D) +IP’(SI > m|D)IP’(D)



58

We have thus established (4.72) when Ly, |Lg,. We must now show that the same result
holds for any 7" when Ly, 1 7. To do so, let Lq, = T"Lg,, then we have

Ld2 T

P(Zﬁ>m>ﬁp<;(l+—1{)m>m). (4.80)

q=1

Using (4.72) when Ly, |Lg, and (4.80) when T"|L,4, together establishes (4.72) for any two

positive integers.



CHAPTER 5
MIMO LINEAR PRECODING

5.1 Introduction

Precoding is a preprocessing technique that exploits channel-state information at the trans-
mitter (CSIT) to match the transmission to the instantaneous channel conditions [4,24, 32].
Linear and non-linear precoding designs are available in the literature [33]. Linear precoding
in particular provides a simple and efficient method to utilize CSIT. Linear precoding has
been shown to be optimal in certain situations involving partial CSIT [34,35], however, in

many instances the main motivation of linear precoders is to simplify the MIMO receiver.

Linear precoders include zero-forcing (ZF), matched filtering (MF), Wiener filtering, and
regularized zero-forcing (RZF). The ZF precoding schemes were extensively studied in mul-
tiuser systems as the ZF decouples the multiuser channel into independent single-user chan-
nels and has been shown to achieve a large portion of dirty paper coding capacity [36]. ZF
precoding often involves channel inversion, using the pseudo-inverse of the channel or other
generalized inverses [33]. Matched filter (MF) precoding [37], similarly to the MF receiver,
is interference limited at high SNR but it outperforms the ZF precoder at low SNR [33].
The regularized ZF precoder, as the name implies, introduces a regularization parameter
in channel inversion. If the regularization parameter is inversely proportional to SNR, the
RZF of [38] is identical to the Wiener filter precoding [33]. Peel et al. [38] introduce a vector
perturbation technique to reduce the transmit power of the RZF method, showing that in

this way RZF can operate near channel capacity.

This chapter analyzes the diversity of MIMO linear precoding, with or without linear
receivers, under flat fading. We show that in a M x N MIMO channel with M > N, the ZF
precoder has diversity M — N + 1. We show that Wiener precoders produce a diversity that

59
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Figure 5.1. MIMO with linear precoder

is a function of spectral efficiency as well as the number of transmit and receive antennas.
At very low rates, the Wiener precoder enjoys diversity M N, while at very high rates it
achieves diversity M — N + 1. These results are reminiscent of MIMO linear equalizers [5],
even though in general the behavior of equalizers (receive side) can be very different from
precoders (transmit side) and the analysis does not carry from one to the other. We also
show that MIMO systems with RZF and MF precoders (together with optimal receivers)
exhibit a new kind of rate-dependent diversity that has not to date been observed or reported,
i.e., they either have full diversity or zero diversity (error floor) depending on the operating

spectral efficiency R.

We also provide DMT analysis for all precoders mentioned above. The fact that DMT
and the diversity under fixed-rate regime require separate analyses has been established for
MIMO linear equalizers [5,6] and is explained in Chapter 2 and Chapter 3. Essentially,
the reason is that various fixed rates (spectral efficiencies) for MIMO precoding result in
distinctly different diversities, whereas DMT analysis assigns only a single value of diversity

to all fixed rates (all fixed rates correspond to multiplexing gain zero).

This chapter is organized as follows. Section 5.2 describes the system model. Section 5.3
provides outage analysis of many precoded MIMO systems. Section 5.4 provides the DMT

analysis. Section 3.6 provides simulations that illuminate our results.
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5.2 System Model

A MIMO system with linear precoding is depicted in Fig. 5.1. This system uses the linear
precoder to manage the interference between the streams in a MIMO system to avoid a
requirement of optimal joint decoding in the receiver, which is costly. We consider a flat
fading channel H € CY*M | where M and N are the number of transmit and receive antennas,
respectively. While M > N when using linear precoding alone, we have N > M or M > N
when using precoding together with receive-side linear equalization depending on whether
the precoder is designed for the equalized channel or the equalizer is designed for the precoded
channel (see Figure 6.1). The input-output system model for flat fading MIMO precoded

channel with M transmit and N receive antennas is given by
y=HTx+n

where T € CM*5B is the precoder matrix. In Chapter 6, we will consider the joint effect of

precoding and equalization, where the system model will be
y = WHTx + Wn (5.1)

where W € CP*¥ is the receiver side equalizer. The number of information symbols is
B < min(M, N), the transmitted vector is x € C X1 and n € C V*! is the Gaussian noise

vector. The vectors x and n are assumed independent.

We aim to characterize the diversity gain, d(R, M, N), as a function of the spectral
efficiency R (bits/sec/Hz) and the number of transmit and receive antennas. This requires
a Pairwise Error Probability (PEP) analysis which is not directly tractable. Instead, we
find the exponential order of outage probability and then demonstrate that outage and PEP

exhibit identical exponential orders.

The objective of linear precoding/equalization is to transform the MIMO channel into

min(M, N) parallel channels that can be described by

yk:\/%l’k—Fka, ]C:].,,B (52)
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where v, is the SINR at the k-th receiver output and B = min(M, N), and ny are the

decision point noise coefficients.

The outage probabilities of MIMO systems under joint spatial encoding is respectively
given by [6,7]

B
Po 2 P(Z log(1 + ) < R) (53)
k=1

We shall perform outage analysis for different precoders/equalizers as the first step to-
wards deriving the diversity function. We then provide lower and upper bounds on error
probability via outage probabilities. This two-step approach was first proposed in [2] due to
the intractability of the direct PEP analysis for many MIMO architectures.

We denote the exponential equality of two functions f(p) and g(p) as f(p) = g(p) when

log f(p) _ .. 1og9(p)

lim —>
p—oc log(p)  p=oe log(p)

The exponential inequalities > and < are defined in a similar manner. In the following,
we shall need to specify various upper and lower bounds or approximations of the SINR ~,

which will give rise to a number of variables such as ¥, ¥, and 7.

5.3 Precoding Diversity

In this section we analyze a linearly precoded MIMO system where M > N and the number
of data streams B is equal to N. For the purposes of the developments in this section, there

is no receive-side equalization.

5.3.1 Zero-Forcing Precoding

The ZF precoder completely eliminates the interference at the receiver. ZF precoding is well
studied in the literature via performance measures such as throughput and fairness under a

total (or per antenna) power constraint [39, and references therein].
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Design Method I

One approach to design the ZF precoder is to solve the following problem [33]
T :argnqlin]E[HTng} (5.4)
subject to HT =1
The resulting ZF transmit filter is given by
T = gHY(HHY) ! ¢ CM"V (5.5)
where (3 is a scaling factor to satisfy the transmit power constraint, that is [33]
B*tr(TTY) < p (5.6)

where we assume that the noise power is one and that the information streams are indepen-

dent. From (5.6), the received SINR per stream is thus given by

ZFP _ P
T () ) o0
Using (5.3), the outage probability is given by
p
P = P<N log (1 + W) < R) (5.8)

A direct evaluation of (5.8) is intractable since the diagonal elements of (HH?)™! are
distributed according to the inverse-chi-square distribution [6,40]. We instead bound (5.8)
from below and above and show that the two bounds match asymptotically.

Let {\} be the eigenvalues of HH. Equation (5.8) can be written as
P

= 1) < R>
D k=1 %k

Py = IP’(N log (1 +

which can be bounded as

'ﬁ

]P(Nlog + )\mm) \R) (5.9)
()\mm N2V — 1)Rp~ )

= PAmin < p 7). (5.10)
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The marginal probability density of A, is approximately proportional to: fi(A) o
AM=N) whenever A < 1 [7,17]. Therefore the bound in (5.10) can be evaluated to yield:

Py < p~WM=N+1), (5.11)

We now proceed with a lower bound on outage. The outage probability in (5.8) can be

bounded:

p
P =P(Nlog(l+ ————) <
out ( og( +tr(HHH)*1) R)

1Y
>P( NI 1+ ——— <R
( o8 gy )

= (o< ) (512)

1

where we have made a change of variable z = R T
kk

The random variable z in (5.12) is distributed according to the chi-square distribution
with 2(M — N + 1) degree of freedom, i.e. z ~ X3,y [40]. Thus the bound in (5.12)
can be evaluated [6] yielding:

Py > p M=+, (5.13)

From (5.11) and (5.13), we conclude that the diversity of MIMO system using the ZF

precoder given by (5.4) and joint spatial encoding is

d?*P = M — N + 1. (5.14)

5.3.2 Zero-Forcing Precoding: Design Method II

Notice that the ZF precoder design in (5.4) minimizes the transmitted power. Another
approach for ZF precoding design allocates unequal power levels across the transmit antennas

to optimize some performance measure. For instance, consider the optimization problem [39]

max Z log(1 +~7FF)
i

pE, T

subject to HT = diag{\/p1,..., PN}
E|I T < (5.15)
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where pj is the transmit power for stream k. The optimal solution for (5.15) (assuming

independent transmit signaling) has the following form [39, Theorem 1]:

T = HY(HH") 'diag{\/p1, ..., /DN} (5.16)

where p; are the solution to:

subject to Zpk[(HHH)_lhk <p (5.17)

Due to the logarithmic form of the cost function, the solution has the familiar form of
waterfilling. It is well-known that water-filling may drive some p; to zero. Depending on
the value of p and realization of HH* | it may also happen that all optimal pj, are positive.
The set of realizations of HH? that satisfy this condition are collected into an event that

we denote P. Conditioned on P it is easy to verify that the optimal solution is given by:

N —
_ Pt > e (HH)
N(HH?) 5

The outage probability can then be evaluated as follows

n ~1 k=1,...,N (5.18)

N
Pout = P(IOgZ(pk+ 1) < R)
k=1

= ]P(log i(pk +1) < R‘P)]P(P) + P(log i(pk +1) < R‘ﬁ)]?(ﬁ) (5.19)

k=1 k=1

We will now calculate P(P). Using (5.18), we have

P(P) = P(N(HHH)kkl — ZN:(HHH),C; > p>

k=1

= p-(M=N+L), (5.20)
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where (5.20) is again due to the marginal distribution of A, via the method of [7].

We now bound other terms of (5.19).

(Zlo p+ZkH11({P}II;1 )ik )<R> gP(Zlog(M(H;H)_I)\R) (5.21)
kk 1 kk
- ]P(Zlog(M(H,Ij Jik )>-R (5.22)
k=1
< JP(N log Z((H}IPH>k’fl) R (5.23)
N 1 n
(X2 )
1 1 __=n
S ]P)(pAmin g NQ N>
= P(Apin < p ) (5.24)
= p~(M=NH), (5.25)

where (5.21) holds by discarding the positive element ZQZI(HHH )in- Equation (5.23) fol-
lows from Jensen’s inequality, and the transition from (5.24) to (5.25) is again due to the

marginal distribution of A\, via the method of [7]. Thus

Py = P(log i(pk +1) < R‘P)P(P) + IP’(log i(pk +1) < R'P)IP(P)

k=1 k=1

< ]P’(log i(pk +1) < R’ﬁ) +P(P)

k=1

= p(M=N+1), (5.26)

where we have used (5.20) and (5.25) to obtain (5.26).
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A lower bound on the outage probability can be given as follows.

P — P<1og i(pk +1) <R 75)111’(75) + ]P’(log i(m +1) < R’P)P(P)

k=1

> ]P)(logi(pk +1)<R P)IP(P)

= P(log > (p+1) <R 75). (5.27)

where (5.27) follows since P(P) = 1—P(P) = 1. Thus the outage probability can be bounded

as follows

N 1
+
> P(Nlog ! P R). (5.28)
k=1

The singular value decomposition of H and the corresponding eigen decomposition of

HH” are given by

H =Urv#?
HH” = UAUY

where U € CM*Y and V € CM*M are unitary matrices, I' € RV*M is a rectangular matrix

with non-negative real diagonal elements and zero off-diagonal elements, and A = I'T'” €

RN*N s a diagonal matrix whose diagonal elements are the eigenvalues of HH . Let uy, be

the k-th column of U”. We have
N
I A =

=1

|t |°

Y (5.29)

where wuy, is the (k,1) entry of the matrix U.
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The bound in (5.28) can be rewritten

N
: 1 1
Py >P( N1 — <R
t (OgMN,;zu—i—( == )
p+

N
1 1
> IP’(N log Y v < R) (5.30)

We can bound the sum in the left hand side of (5.30) similarly to the bound in [7, Eq.(18)]

N N
1 N 1
o < (Lo ) D =
k=1 Zl 1T (pr I kl' ),\‘ Amin k=1 Zl:l ’ulé‘z
N
N+p/\m1n Z

k= Zz 1|u1€|2

is similar to [7, Eq.(18)], thus the analysis of [7] applies and we obtain
Pt 2 P(Ain < p71) = p~ M=V, (5.31)

Thus, the MIMO ZF precoding with unequal power allocation (5.17) achieves diversity
order M — N + 1.

Recall that the diversity is defined based on the error probability. In Appendix 5.7.1 we
provide the pairwise error probability (PEP) analysis for the zero-forcing and regularized
zero-forcing precoded systems and show that the outage and error probabilities exhibit same
diversity.

5.3.3 Regularized Zero-Forcing Precoding

In general, direct channel inversion performs poorly due to the singular value spread of the

channel matrix [38]. One technique often used is to regularize the channel inversion:
T = gHY(HH" + cI)™! (5.32)

where (3 is a normalization factor and c is a fixed constant.
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Recall
y = HTx +n = fUAA +cI)"'Ux +n (5.33)

allowing us to decompose the received waveform at each antenna into signal, interference,

and noise terms:

N N
=1 i=1,i#k =1
where the scaling factor (3 is given by § = 7 and

tr]
= tr]
tr[UA + cI)7'A(A + cI) U]

=tr[AA+cD)? =) (Alj\r—lc)? (5.35)

tr[(HH"” + cI)"'"HH" (HH"” + ¢I)™']
tr[(UAU" + ¢I)"UAU? (UAU" + 1) 7]

The received signal power is given by

Pr = E||HTx||?

=E {B%r (UA(A +cI)TUxx"U(A + cI)—lAUH)}
=E [ﬁ%r (A(A + ) TTUxx"U(A + cI)_lAUHU)}

= [(*tr (A(A + D)UY E(xx")U(A + cI)—1A>

_%tr[(AJrcI 7% = ﬁpz )\l+c (5.36)

where we have used E(xx') = £1.

The SINR is evaluated by computing the signal and interference powers from (5.34). For

a given channel H, the power of desired and interference signals at the k-th receive antenna



70

are respectively given by

9 N 2
® _ Bp Al 2
Py W(g yral L1 ) (5.37)
) N N 2
J W Z Z g (5.38)
i=1, =
Thus the SINR for the k-th signal stream is given by
k
Ve = —P](j)
P 11
2
2
% ( Z;\il )jic |ukl|2)
_ 5 (5.39)

+1

B2p N N N *
N Zi:l,i;ﬁk Zl:l )\H-cukluil

Defining the exponential order of eigenvalues \; = p~* in a manner similar to [2], and

2
—a
(Zz e |UM|2>

Ve = 2

N p~ %
Z’L;ék Zl:l p~Y+c uklull

- 2
Zz’;ﬁk 2511 upupp~ | +Np~t Zf\il p=

using the definition of n = 372,

+ Npn

where we have substituted for 7 using (5.35), and the asymptotic equality follows because

constant ¢ dominates p~*, a fact that also implies n =), p~*

Multiplying the numerator and denominator of (5.40) by p?, we have

2
<Zz Pl_al|uk1\2)

2

(5.41)

Ye=

N * o 1— N 1—
Do ugugptTet + N YL ptre

Zi;ék:
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The sum in the numerator of (5.41) is, in the SNR exponent, equivalent to:

Do T P = pl ey " g
l l

= p'Cmin (5.42)

where we use the fact that Y, |ug|* = 1. Similarly, for the first term in the denominator

of (5.41)

; 2—20amin §

i#k

= p2_2a"‘i" Z Wi (543)

ik

§ ukluzl

=1

>

ik

* l—«
g U Uy p- !

=1

2

where we define wy; = Zfil upwy;| . Notice that wy; < 1.

Using (5.42) and (5.43), the SINR in (5.41) is given by

(o) (5.44)

V= : = .
> 0min Ei;ék Wi + N D22, ple

If all ap > 1 then the exponents of p are negative and the denominator is dominated by
its second term, which also dominates the numerator. If at least one of the a, < 1, then the

maximum exponent which corresponds to a,;, dominates each summation. Thus we have:

pl~Cmin ap>1,...,ay>1
,YIC = (plfamin>2 th . (545)
otherwise
7 omin 3 wat N g e
ik

We now concentrate on the case where there exists at least one ap, < 1. We define

min = II]%ID Wi (5.46)
k;ﬁz
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therefore in this special case we have:

—Omin 2
< ) (5.47)
= N_ 1 1—0min 2 . N 1—0min ’
( ) (p1=omin) imin + N p
1
A —
=7
Thus in general

. v

A

=7

where v is a new random variable defined as:

Ko if ap > 1VEk
Y= (5.50)

1 otherwise

A _ .
where K, = pl~%min,

We can now bound the outage probability as follows

:]}D( - g@) (5.51)

where © 2 (28/N — 1)(N —1).

The bound in (5.51) can be evaluated as follows

IP’( v é@) :IP’< Y <@‘V:KQ>IP(V:/<Q)+P( v <@|V:1>IP’(V:1)
Hmin Hmin Hmin
= P(ma <O ,umm)IF’(V = Iia> + IF’( < @)]P’(l/ = 1). (5.52)

,umin
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Notice that P(/ia <06 ,umin) = 1 since K, is vanishing at high SNR and © and p,;, are
positives. We now need to compute ]P’(V = Iia) and ]P’(V = 1), or equivalently IP’({ozk >

1 ‘v’k:}) and its complement. We use one of the results of [5].

Lemma 5.3.1 Let {)\,} denotes the eigenvalues of a Wishart matric HHY | where H is an

_ log(An)
log(p) -

N x M matrixz with i.i.d Gaussian entries, and let o, = If 1., denotes the number

of oy, that are greater than one, then for any integer s < N we have [5, Section III-A] !
P(1,, = s) = p TN, (5.53)
Thus setting s = N (i.e. all a, > 1) in (5.53) yields

P(v=ke) =P(la, =N) =p MV (5.54)
P(vr=1) = 0(1) (5.55)

where O(1) is a non-zero constant with respect to p.

Evaluating (5.52) depends on the values of © which is always real and positive. If © < 1

then we have

IF’(MV' < @) = pMN (5.56)

because P(ul < @) =0 as 1/pmin > 1. On the other hand if © > 1 then

min

1
HMmin
= 0(1) (5.58)

]P’( v g@) = p MV 4 p(

o <0)0(1) (5.57)

since IP’(/% < @) is not a function of p because u is independent p. For the set of rates where
© > 1, equation (5.58) implies that the outage probability in (5.82) is not function of p and
thus the diversity is zero, i.e. the system will have error floor. The set of rates for which
© > 1 are

N
R > Nlog (——) £ Ry,. 5.59
N-—1

Note that [5] analyzes linear MIMO receiver where it is assumed N > M. It can be
easily shown that the above Lemma 5.3.1 applies for the case considered here where M > N.
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This concludes the calculation of a lower bound on the outage probability. A similar

approach will yield a corresponding upper bound, as follows. Let
A ’ >f</ 2 .
Mmax = rili‘zx |Ukl Uy | (5 60)

A lower bound on the SINR is given as

v

= N i (5.61)

JANIDN

The outage probability is bounded as
N
Pout < P(Zlog(l +4) < R>

k=1

v
= IP( < @). (5.62)

/Lmax

We can evaluate (5.62) in a similar way as (5.52), establishing that the outage diversity

RZF
dout

dB®2F = 0 if R > Ry;,. This shows that the performance of RZF precoder can be much better

out

= MN if the operating spectral efficiency R is less than Ry, = Nlog(+5), and
than that of the conventional ZF precoder MIMO system whose diversity is M — N + 1

independent of rate.

Recall that diversity is the SNR exponent of the probability of codeword error. In Ap-
pendix 5.7.1, we show that the outage exponent tightly bounds the SNR exponent of the

error probability. Thus we have the following theorem.

Theorem 5.3.2 For an M x N MIMO system that utilizes joint spatial encoding and reg-
ularized ZF precoder given by (5.32), the outage diversity is d®*Y = MN if the operating

spectral efficiency R is less than Ry, = N log (%), and d®Y =0 if R > Ry, .

Remark 5.3.1 Ry, s a monotonically decreasing function of N with the asymptotic value

1

imy oo Ry = 15 & 1.44. Overall we have 1.44 < Ry, < 2, leading to an easily remembered

rule of thumb that applies to all antenna configurations. Reqularized ZF precoders always

exhibit an error floor at spectral efficiencies above 2 b/s/Hz, and enjoy full diversity at

spectral efficiencies below 1.44 b/s/Hz.
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5.3.4 Matched Filter Precoding

The transmit matched filter (TxMF) is introduced in [33,37]. The TxMF maximizes the
signal-to-interference ratio (SIR) at the receiver and is optimum for high signal-to-noise-ratio
scenarios [33]. The TxMF is also proposed for non-cooperative cellular wireless network [41].
The TxMF is derived by maximizing the ratio between the power of the desired signal portion

in the received signal and the signal power under the transmit power constraint, that is [33]

E XH~ 2
T =arg max (H—YQH) (5.63)
T E(|n|]?)
subject to: E||Tx||> < p
where y is the noiseless received signal y = Tx.
The solution to (5.63) is given by
T = gAY (5.64)

with

1
p= “m- (5.65)

We now analyze the diversity for the MIMO system under TxMF'. The received signal is
given by
y = HHx + n = SUAUx + n.

The received signal at the k-th antenna
N N N
=1 i=14#k N I=1
The SINR at k-th receive antenna is
2
L ( S )\l!ukz|2)

Ve = 5
N N
P& Zizl,i;«ék > i1 AUk,

+1
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Substitute with the value of 3 and \; = p™*

2
N —a
(zlzlp l|umrﬂ)

3
+ Np! Z;\il p

(5.67)

Ve =

N N .
Zi:u;ék D oim1 P MUy

Observe that (5.67) is the same as the SINR of the RZF precoded system given by (5.40).
Hence the analysis in the present case follows closely that of the outage lower bound of the
RZF precoder, with the following result: the system can achieve full diversity as long as the
operating rate is less than Ry, given in (5.59). The pairwise error probability analysis is also
similar to that of the RZF precoding system (given in Appendix 5.7.1) which we omit for
brevity. Thus we conclude that Theorem 5.3.2 applies for the TxMF precoder.

5.3.5 Wiener Filter Precoding

The transmit Wiener filter TxWF minimizes the weighted MSE function.

{T, 8} =argming 4E(||x — 57'¥)

subject to E(||Tx||*) < p. (5.68)

Solving (5.68) yields
T = gF'H” (5.69)

with

F= (HHH + EI)
P

1

U=\ (e 570)

where [ can be interpreted as the optimum gain for the combined precoder and channel [33].

Notice that the TxWF precoding function is similar to that of the MMSE equalizer [16].
Indeed the SINR of both systems are equivalent. To see this, we first compute the SINR for
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the precoded H € CM*V (with M > N) MIMO channel

28T H)pp|?
W= gasN (2 s 2 (5.71)
N Zi;«ék (T H)pl?> + 1
— LT H)pp? -
£ 5N (T H) 2 + te(F-2H7TH)

where we have used the independence of the transmitted signal to compute (5.71).

Now consider a MIMO channel Hy = H? € CV*M_ The MMSE equalizer for this channel
is given by

N
W, = (HJH, + ?I)”Hf. (5.73)

The received SINR for that system is given by

MMSE _ ﬁ|(we H2)kk|2

f)/ .
‘ x Zfik (W Hy)pil? + tr(W . W,)

(5.74)

Since W, Hy = Ty rpH and tr(W.W,) = tr(F2H?H), we conclude that 4MMSE =
YWEP Hence the diversity analysis of [5,7] for the MIMO MMSE receiver applies for the
MIMO Wiener precoding system. It is shown in [5] that this diversity is a function of rate

R and number of transmit and receive antennas. We thus conclude the following.

Lemma 5.3.3 Consider a channel H € CM*N the diversity of the MIMO system under
Wiener filter precoding is given by

dVFP = [N27 V]2 4 (M — N)[N2 ~] (5.75)

where (1)t = max(-,0) and [-].

Remark 5.3.2 [t is commonly stated that MMSE and ZF operators “converge” at high SNR.
The developments in this chapter as well as [6] serve to show that although not false, this
comment is essentially fruitless because the performance of MMSE and ZF at high SNR are
very different. This apparent incongruity is explained in the broadest sense as follows: Even

though the MMSE coefficients converge to ZF coefficients as p — oo, the high sensitivity
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of logarithm of errors (especially at low error probabilities) to coefficients is such that the
convergence of MMSE to ZF coefficients is not fast enough for the logarithm of respective

errors to converge.

5.4 Diversity-Multiplexing Tradeoff in Precoding

For increasing sequence of SNRs, consider a corresponding sequence of codebooks C(p),

designed at increasing rates R(p) and yielding average error probabilities P.(p). Then define

r = lim R(p)
p—oe log p
p—oo  logp

For each r the corresponding diversity d(r) is defined (with a slight abuse of notation) as

the supremum of the diversities over all possible codebook sequences C(p).

From the viewpoint of definitions, the traditional notion of diversity can be considered
a special case of the DMT by setting » = 0. However, from the viewpoint of analysis, the
approximations needed in DMT calculation make use of R(p) being a strictly increasing
function, while for diversity analysis R is constant (not strictly increasing function of p).
Thus, although sometimes DMT analysis may produce results that are luckily consistent
with diversity analysis? (r = 0), in other cases the DMT analysis may produce results that
are inconsistent with diversity analysis. Certain equalizers and precoders fall into the latter
category. In the following, we calculate the DMT of the various precoders considered up to

this point.

2E.g. the point-to-point MIMO channel with ML decoding,.
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ZF Precoding

Recall that two ZF precoding designs have been considered. For the ZF precoder minimizing

power, given by (5.5), the outage upper bound in (5.9) can be written as

Pout < IP)()\min < P(%_l)) (576)
ipf(MfN+1)(1f%) (577>

where we substitute R = rlogp to obtain (5.76), and equation (5.77) follows in a manner

identical to the procedure that led to (5.11).

Similarly the outage lower bound (5.12) can be written as

Pout 2 ]P)(Z < P(%_l))

- pf(M7N+1)(17%) (578)

From (5.77) and (5.78) we conclude
d?TP(r) = (M — N +1)(1 - %)*. (5.79)

The DMT of the ZF precoder maximizing the throughput, given by (5.16), is obtained in
an essentially similar manner to the above, therefore the discussion is omitted in the interest

of brevity.

Regularized ZF Precoding

We begin by producing an outage lower bound. To do so, we start by the bound on the
SINR of each stream k obtained in (5.45), and further bound it by discarding some positive
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terms in the denominator.
(pl_amin)2
7% - * 1—cmin |2 1—omi
Zl#k ‘uklui[ p min _|_ Np min
( (pl_o‘min)2
k=1

2
p2(1*9‘min) +Np17[!min
2

*

21

)

2
Il/ +Np1_°‘min

Upr U

N\

L pz(l_o‘min)

Up U
(

L k=1

[wperul,, |2

1 E>1

\ |ukl'u’{l/\2

We can now bound the outage probability

N
P = P(Zlog(l + %) < R)
k=1

Nlog) %(1 + ) < R> (5.80)

Z%(H%) < p§> (5.81)

N
>P<L+Z% <pfv)- (5.82)

k=2
where we have used Jensen’s inequality in (5.80).

For notational convenience define

a1 Yoo

luerugy > = luwrugy [? ‘

(3
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Then the bound in (5.82) can be evaluated as follows:

P(vip < p~)
P

=P(0 < p¥)P(v=0) +P(¢) < p~)P(v =1)

=p MV L P(y < p¥) O(1). (5.83)
> p MV +0(1) (5.84)
= 0(1) (5.85)

where (5.83) follows from Lemma 5.3.1, and (5.84) is true as long as P(¢ < p¥) = O(1),
the proof of which is relegated to Appendix 5.7.2.

Since the outage lower bound (5.84) is not a function of p, the system will always have

an error floor. In other words the DMT is given by
d#rP(ry=0 0<r<B (5.86)

We saw earlier that in the fixed-rate regime RZF precoding enjoys full diversity for
spectral efficiencies below a certain threshold, but it now appears that DMT shows only zero
diversity. DMT is not capable of predicting the complex behavior at » = 0 because the DMT
framework only assigns a single value diversity to all distinct spectral efficiencies at r = 0.

A similar behavior was observed and analyzed for the MMSE MIMO receiver [5-7].

Matched Filter Precoding

The DMT of the MIMO system with TxMF is the same as the DMT given by (5.86) due to
the similarity in the outage analysis (see Section 5.3.4). We omit the details for brevity.
Wiener Filter Precoding

Since the the received SINR of the MIMO system using TxWF precoding is the same as
that of MIMO MMSE receiver, we conclude from [7] that the DMT for the TxWF precoding
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Wiener filter precoding
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Figure 5.2. Outage probability of the ZF and Wiener filtering precoded MIMO 2 x 2 system
for rates (left to right): R =1.9,2.5, and 3 b/s/Hz.

system is

dVFP(r) = (M~ N+1)(1— %)*. (5.87)

Similarly to the MIMO MMSE receiver [5,7], we observe that DMT for the MIMO system
with TxWF does not always predict the diversity in the fixed rate regime given by (5.75).

5.5 Simulation Results

This section produces numerical results for the outage probabilities of ZF, regularized ZF
(RZF), matched filter (MF) and Wiener precoding systems. Figure 5.2 shows the outage
probabilities of the ZF and Wiener-filter precoded 2 x 2 MIMO systems. The diversity in
the case of the ZF case is the same as the one predicted by the DMT. In the case of Wiener
precoding, the diversity is the same as the one predicted by the DMT for high rate (R) values
and it departs from the DMT for low rate values. A complete diversity characterization is

given by (5.75) which is similar to that of the MMSE MIMO equalizer [5]. Figure 5.3 shows
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Figure 5.3. Wiener precoded 3 x 3 MIMO system. The diversities are d = 9,4 and 1 for

R =1.5,4 and 5 b/s/Hz respectively.
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Figure 5.4. MF and regularized ZF precoded 2 x 2 MIMO system for rates (left to right):
R =1.9,2.5, and 4 b/s/Hz. The diversity is d = 4 for R = 1.5 b/s/Hz and d = 0 otherwise.
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outage probabilities for a 3 x 3 MIMO system with Wiener precoding. The diversity for the
rates R =1.5,4, and 5 b/s/Hz is 9,4 and 1 respectively. Figure 5.4 shows an error floor for
the regularized ZF and matched filtering precoded 2 x 2 system at high rates. However we

observe that the maximum diversity is achieved for any rate R < 2 (c.f. Equation (5.59)).

5.6 Conclusion

Linear precoders provide a simple and efficient processing, and have been shown to be op-
timal in some scenarios [34-36]. This chapter studies the high-SNR performance of linear
precoders. It is shown that the zero-forcing precoder under two common design approaches,
maximizing the throughput and minimizing the transmit power, achieves the same DMT as
that of MIMO systems with ZF equalizer. When a regularized ZF (RZF) precoder (for a
fixed regularization term that is independent of the signal-to-noise ratio) or matched filter
(MF) precoder is used, we have d(r) = 0 for all r, implying an error floor under all condi-
tions. It is also shown that in the fixed rate regime, RZF and MF precoding achieve full
diversity up to a certain spectral efficiency, while at higher spectral efficiencies they produce
an error floor. If the regularization parameter in the RZF is optimized in the MMSE sense,
the RZF precoded MIMO system exhibits a complex rate-dependent behavior. In partic-
ular, the diversity of this system (also known as Wiener filter precoding) is characterized
by d(R) = [N2"%]2 + (M — N)[N2-~] where M and N are the number of transmit and

receive antennas. This is the same behavior observed in linear MMSE MIMO receivers [5].

5.7 Appendix

5.7.1 Pairwise error Probability (PEP) Analysis

In this section we perform PEP analysis for the the zero-forcing (ZF) and the regularized
ZF (RZF) precoding systems. The presented analysis can be easily extended to all other
precoding systems. The basic strategy is to show the SNR exponent of outage probability
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bounds the SNR exponent of PEP from both sides The PEP analysis follows from [5, 15],
with careful attention to the system model given by Equation (5.1).

The lower bound immediately follows from [15, Lemma 3| by recognizing that although
it was developed for SISO block equalization, nowhere in its development does it depend on

the number of receive antennas, therefore we can directly use it for our purposes:
Poyr 2 Pous. (5.88)

The upper bound on PEP for the ZF /RZF precoding systems receiver is developed using
the union bound. Denote the channel outage event by O and the error event by E. The
PEP is given by

Perr - P(E|O) Pout_l'P(EvO_)
< Paut+P(E, O) (589)

In order to show that P,,; dominates the right hand side of (5.89), it is shown in [5] that

the probability P(E,O) can be bounded as follows using the union bound
_ . — N
P(E,0) < 2fle sak L pMN (5.90)
where [ is the codeword length and o2 (k) is the variance of the interference plus noise signal
n in the k-th receive stream 3. The proof of [15] does not depend on the codeword length for

both upper and lower PEP bounds. The bound are tight and were confirmed by simulations

for outage and error probabilities.

We now show that a similar proof holds for regularized zero-forcing (RZFP). Recall that
the outage probability of the RZFP can be upper bounded by (5.62)

Poutg]P)(V g@)épb

out
Hmax

to further bound (5.89). Moreover P(FE,O) can be upper bounded by

(5.91)

We will use P?

out

bounding the noise variance o2 (k) in (5.90)

Oa

2(k)y=P+P, <Pr+1 (5.92)

3 [15] analyzes linear receivers so n is the k-th output filtered interference plus noise
signals. By symmetry assumption all the equalizer outputs have equal noise variance.
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where we have used the noise power P, = 1, and bound the interference power by the
total received power Pr. We will first consider the case of RZF precoding since the case
of ZF precoding can be easily deduced from RZF by substituting setting the regularization
parameter ¢ = 0. For the RZF precoding system we use the Pr given by (5.36) which can

be simplified in a way similar to earlier sections

= — pl™%min (5.93)
Using the union bound (5.90),

| 2BteAtmin g < 1
P(E,0) < (5.94)

_ L
2Rle—N Opin > 1

Since the exponential function dominates polynomials we have

1. e—po‘min 0
11m =
p—00 prN
and
e_p
lim =0
p—00 p—MN

which in turns gives

P(E,0) < p™ MV (5.95)



87

Using (5.91) and (5.95), the PEP given by (5.89) is bounded as

Perr<Pout+ P(Eaé)
< P(g)ut—{_ p_MN
= Pobut

= pdou, (5.96)

therefore d > d,,; which concludes the proof for the RZF system.

For the ZF precoding system, it can be directly shown that a similar proof holds for both

ZF precoding designs.

5.7.2 Proof of Eq. (5.84)

Recall that

P& 1 1
uugy [ = Jugruiy|?
All terms of ¢ the common factor m Thus we have
1/} = wawb
1
Yo = —
| [?
1 1 1 1 1
wz(* + + + +m+——). 5.97
* T\ P Tl TP TP T T 597

Observe that all the terms of 1, are distinct except for the first two.

We now bound the probability ]P’(w < p%).

p
<) (5.98)
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Using 9 = ¥y, we can further bound (5.98)

P(y < c) =P(vathy < ¢)
2 P(%% <c ‘wa < C2) ]P)<¢a < 02)
> ]P’(cy,bb < c) P(1), < c9).

We thus have

P(y < pv) 2Py < ) P(¢he < 2) (5.99)

and ¢ = c/cy.

We now evaluate the two probabilities in the right hand side of (5.99). The first probabil-
ity ]P’(wb < /d ) = O(1). The proof easily follows from [7, Appendix A] with the observation
that this proof holds even when the two first elements of 1, are the same. The second prob-
ability P(i, < ¢g) is evaluated as follows. Let ¢ = |uyy|?
from [38, Appendix A]

. We use the following distributions

then

Py < c2) =P(q > l)
Co

1

~ [ st g

1

€2

—(1- Lyv-2 (5.100)

C2

Observing that (5.100) is not a function of p concludes the proof.



CHAPTER 6
EQUALIZATION FOR LINEARLY PRECODED TRANSMISSION

6.1 Introduction

The objective of a precoded transmitter is to separate the data streams at the receiver. In
other words, linear precoding is a method of interference management at the transmitter. In
general, precoded systems do not require interference management at the receiver, however,
once a transmitter is designed and standardized (as precoders have been), some standards-
compliant receivers may opt to further equalize the precoded channel (see Figure 6.1). This

section analyzes the equalization of precoded transmissions.

When the transmit and receive filters can be designed jointly and from scratch, singular
value decomposition becomes an attractive option whose diversity has been analyzed in [42].
The distinction of the systems analyzed in this section is that the precoders can be used
with or without the receive filters, while with the SVD solution neither the transmit nor the

receive filters can operate without each other.

A snapshot of some of the results of this section is as follows. It is shown that equalization
at the receiver can alleviate the error floor that was observed in matched filter precoding as
well as regularized ZF precoding. It is shown that MMSE equalization does not affect the
diversity of Wiener filter precoding, but ZF equalization does indeed affect the diversity of

Wiener filter precoding in a negative way.
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Figure 6.1. MIMO with linear precoder with receive-side equalization

6.2 System Model

The input-output system model for an M x N flat fading MIMO channel with a precoder

CM*B and a receiver equalizer W € CB*V is

matrix T €
y = WHTx + Wn. (6.1)

where B is the number of data streams, with B < min(M, N). In most wireless systems, the
equalizer at the receiver is designed to equalize the compound channel (HT') composed of
the precoder and the channel (rather than designing the precoder for the equalized channel

(WH) although it is possible). In such case we have M > N and we set B = N.

6.2.1 ZF Equalizer

The ZF equalizer is analyzed when operating together with various precoders, as follows.

Wiener Filter Precoding

The TxWF precoder is given by
N\
T = B(HHH + —I) H
p

-1
— gHY (HHH + %IN) (6.2)
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where (6.2) follows from [43, Fact 2.16.16] !. The scalar coefficient 3 is given in (5.70) and,
similar to (5.35), it can be written as 3 = 1/,/n

N
(A + Np=1)2

=1

n = tr [A(A + Np™! 1)72} = Z al
The ZF equalizer for the precoder and the channel is given by
Wyp = (HPH) ' H (6.3)
The composite channel H is given by

H=HT.

The received signal is given by
Yy = WZFHTX + WZFII. (64)

The filtered noise n = Wzpn is is a complex Gaussian vector with zero-mean and

covariance matrix R; given by

R; = [HPH]™
= [HH" + Np~' 1)~} (HH" *(HHY + Np 1)~
= [UA(A + Np'T)'UPUA(A + Np ')~ 'uf]

= [UA%(A + Np ' D) 20U

where we have used the eigen decomposition HH? = UAUY. The noise variance of the

output stream k is therefore

N _ 2
A+ Npt
Ri(k, k) = § (%) | |* (6.5)

=1

Let A € C"™ and B € C™" then (I, + AB)"'A = A(I,, + BA)~!. This fact can be

proved via Matrix Inversion Lemma.
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where (6.5) follows in a similar manner as (5.29). We can compute the signal-to-noise ratio

of the ZF filter output:
__rrE
= N Rk, k)
p/N
_ . 6.6)
)\j —1\2 (
Z;‘Vzl N tNp-1)2 Zl]\il ()\ﬁivp ) ||
(A p~t) l

Due to the complexity of (6.6) we proceed to bound the outage from above and below.

The upper bound on outage is calculated as follows. Since |uy| < 1,

p/N
T Z TN %, N (MtNp1\2 (6.7)
D=1 TN i ( L )
1/N
S s (6.8)
J=1 (p1=% +N)2 =1 pl—
2 5, (6.9)

where we have substituted \; = p~® in (6.8). Thus the outage probability is bounded as

N
Py = P(Zlog(l + %) < R)
k=1

N
< P(Zloguw) < R)
k=1
—P(3 <2V — 1) (6.10)

Similarly to the analyses of earlier cases, we examine the SINR bound #4 for different values

of oy. Define the set B = {l | a; > 1} and the event
L={|B| =N} (6.11)

we have

—P(y<2v —1 ‘ﬁ)P(£)+IP’(A <28 —1 ‘E_)P(Z) (6.12)
2

N 1‘5). (6.13)
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To calculate the first term in (6.13), we evaluate 4 when «; > 1 VI

. 1/N
¥ = =F - (6.14)
Zj:l p- 21:1 2o
) 1/N
s N (6.15)
21:1 p2=ag)
L e [N
R Qmax) _ A 6.16
Np Np mln ( )

where (6.14) follows because p' =+ N = N, (6.15) follows because Zjvzl p' %<1, and (6.16)

follows because the sum in (6.15) is asymptotically dominated by the largest component.

We further bound the first term in (6.13)

IP(& < 2% — 1\£>< IP’< AL < 21’3)
N”
=P(Amin < p ) (6.17)
= - (M=N+D) (6.18)

where (6.17) is the same as (5.10) , hence (6.18) follows.

To calculate the second term in (6.13), we evaluate 4 when one or more «; < 1. Consider
the the two summations in the denominator of (6.8). The first one can be asymptotically

evaluated as

N 1_a.
D
]:1 aj<1 a;>1
_(1_amax) rl_—
p L] =N
. (6.19)
max(p~ '+, pl=e") < pmreme) 1 L] < N

where o/ = max,; <1 o; and o = min, - a; and Eq. (6.19) follows because

1!

min(p~ 1, plme") L p(memas),
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The second summation in the denominator of (6.8) can be evaluated as follows

S (N ey S

l1-a
=1 p : a;<1 Otl>1
1 IL| =N
= (6.20)
p2meme) 1< |2| < N
We now use (6.19) and (6.20) to bound 4
et = A [L] =
vz
gt = N3 1< |L] < N
£ 5 (6.21)
We thus have
Poutgp(:}/<2]v _1‘£>
< P(7 <2V — 1‘£>
<]P>(W<2z}3—1‘|8|: )+P(§<2N—1‘0<|B|<N>
=PAmin < p7) + PN < p70)
= ]P)()\min < P_l)
= p-(M=N+D, (6.22)

This concludes the calculation of outage upper bound. We now proceed with the outage
lower bound.

Define the event Q = {|ay| =€ Vk,l} where ay is the (k,[) entry of the unitary matrix
U (c.f. equation (5.29)). Define

(6.23)

] 1/N
/y = N l a1 N2
2] 1 (pl O‘] +N Zl 1 ( pl l:; ) ¢

Notice that ¥ > ~ because |ag| > € Vk,I.
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The outage probability is bounded as

log(1+7%) < R) P(Q) (6.24)
=P(y < 2% — 1) P(Q) (6.25)

The probability P(Q) = O(1), i.e. non-zero constant with respect to p. The proof is
similar to the one in [7, Appendix A] and omitted here for brevity. We thus have

< oW — 5) (6.26)

where (6.26) holds since P(£) = O(1) as given by (5.55).

We further bound the outage probability by bounding 4 as follows. Once again consider

the two summations in the denominator of (6.23). For the first summation of (6.23), we

have
N 1_a.
PO Py > PR S
j:l 7+ N (lj<1 ! a;>1
p_(l_amax) |E| — N
= (6.27)
max(p~ 1+ pl=e") > plromax 1 < |L] < N

where the bound in the second line (6.27) is true because

IPLTRD SACED ST

Oéj<1 a;>1 a;>1
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Using (6.19) and (6.27) to bound 4 Substituting back in (6.23) gives:

. pl_amax = p)\min |£_‘ =N
F<
pl—amax = PAmin 1< |E| < N

4

(6.28)

cC

Thus the outage bound in (6.26) can be then evaluated as we did for the upper bound
Pyt < P(& > o8 — 1 E)

%gzﬁ—12)

<P(%<25_1mpﬂvpmﬂ:®+m<%<2ﬁ—4&0<Mﬂ<N)WMV<N)

=PAmin < p7') O(1) + PAuin <p7') O(1) (6.29)
- ]P()\mm < Pil)
= p~(M=N+1), (6.30)

where (6.29) follows as a direct result of Lemma 5.3.1. From (6.22) and (6.30), we conclude

that the diversity of MIMO system using TxWF precoder and ZF equalizer is

dVFP=ZE = M — N + 1.

Regularized Zero Forcing Precoding

The ZF equalizer is given by (6.3) where the composite channel H = HT. The received
signal to noise ratio of the k-th output symbol of the ZF filter as

_pP
= N Ra(k, k)
_ pIN (6.31)

N A N  (MN+N)2 ’
Yo ten et (5 Tl

The process of obtaining lower and upper bound has many similarities with the devel-

opments of Section 6.2.1, therefore we omit many of the steps in the interest of brevity by

referring to the previous developments.
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We begin with the outage upper bound, which is developed in a manner similar to (6.10).

Py = (Zloglﬂk R)
P(Zlog(l%—ﬁ)é]%)
k=1

=P(y<2v —1) (6.32)

where
. p/N
I NAN
2= 1(A+N)‘ZZZ 1 lj\rl )
p/N
N —aj N 4N 2
> im1 (p_ﬁjw 2im1 (pp_:; )
. p/N
SN (6.33)
Zj:1p WY g PP
s R
> e PP
N
LN (6.34)

p2amaz

Thus the outage in (6.32) can be bounded as

Poutgp( 2N_1)
R
N

<2

= pa(M=N+1) (6.35)

—P(y <2V — 1) (6.36)
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where
5 = p/N
e by N [ A\+N\2
Zj:l ()\ﬁ—JN)Z Zl:l ( l)\l ) €
_ p/N
N —a; N —o 1 N\ 2
Zj:l m 2= (pp_‘j; ) €
B p/N
Zévzl p- El]il epr
N
< P/ < for arbitrary j
P Y €pP
. p/N
€ p—OcijO(max
_ IO/N)\gmn
N € )\j
2 % (6.37)

Let Cy = (2% —1)e N, Cy = C1& where £ is a fixed positive constant (independent of p),

we have

Pou > P(7 < 2% — 1)
>P(5<2v - 1)
. 22
2 P(p)\r;un < Cl)
pAZ;
> IP’( SO 2 §>IP’(>\] > §)
J
> P(pAln < Co)P(N; > €)
= ]P)(pAIQHin < 02)' (6.38)

The exponential inequality (6.38) holds because P(\; > &) = O(1), as proved in Ap-
pendix 6.5.1. We thus conclude:

1
dRZFP*ZF — §<M—N+1)
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Remark 6.2.1 We note that the diversity of reqularized zero-forcing precoder together with
a zero-forcing equalizer can be fractional. To our knowledge this is the first instance of

fractional diversity uncovered in the literature.

Matched Filter Precoding

In this case, the composite channel is
H=HT = gHH".

The noise correlation matrix is given by

Ry — [HYH]" — & (HH?)Y = = (uAzUuT)!
52 32
Thus B
1 1
Ri(k, k) = 7 Z A—%yum? (6.39)

The precoder normalization factor 3 = 1/,/1, where 7 is given by

n = tr[HH"] = Z by

The signal to noise ratio of the k-th symbol of the ZF filter is

P
N R;(k, k)
Zj:l Aj D= ,\_12|7~L1<:l|2

Notice that the SINR 74 in (6.40) is similar to the SINR ~; of the RZF precoding system

Ve =

with ZF equalizer given by (6.31). The only difference is the term Ay + N which, when
applying the transformation of Ay = p~** has no effect on the diversity analysis as detailed
in the previous section. We then conclude that the diversity of the MIMO system applying
MF precoder and ZF equalizer is the same as the diversity of the RZF precoder with ZF
equalizer. Thus:

dMEP=2E — %(Z\/[ — N+ 1). (6.41)
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6.2.2 MMSE equalizer

The MMSE equalizer has better performance compared to ZF and is therefore widely pop-
ular. We investigate the diversity of MIMO systems that deploy different precoders at the

transmitter and MMSE equalizer at the receiver.

MFTx Precoding

The MFTx precoder, Typp , is given by (5.64). The MMSE equalizer for the precoded

channel is given by

1
Woinse = []I—]IH]HI + Np_lI] " (6.42)

where H = HT yrp = ByrrpPHHY and By rp is given by (5.65).

The SINR at the output of the MMSE filter is given by [16]

-1

_ ! . (6.43)

-1
]

kk

where Hy, is a submatrix of H obtained by removing the k-th column, hy,.

The diversity analysis of the precoded system uses some results from the un-precoded

MMSE MIMO equalizers [5], which we quote in the following lemma.

Lemma 6.2.1 consider a quasi-static Rayleigh fading MIMO channel H € CM*N (M > N),
the outage probability of the MMSE receiver satisfies

P = IP’(tr(I - %PIHFI)‘I > Nz—ﬁ) (6.44)
Yoo 0
= IP( — > N2N> (6.45)
; L+ &N,
- p_dI\/I]WSE (646)

where {\}.} are the eigenvalues of H and dMM5E s given by (5.75).
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Substituting A} = p~%, we have

af —1 /
1 Pk o, <1
T S ’ (6.47)
N7k 1 a, >1

thus the term is either zero or one at high SNR, and therefore to characterize the

1
14+pAL, /N
sum in (6.45) at high SNR we count the number of ones, or equivalently the number of

a}, > 1. Hence the outage probability reduces to [5]

Pt = ]P’< Si= [szﬁ). (6.48)

/
O‘k>1

Now we apply the matched filter precoder. Similarly to (6.44), the outage portability is

given by
P = IP’(tr(I + %HHH)—1 > Nz—ﬁ) (6.49)
A n
:P(Z—2 > N2N) (6.50)
k=1 1+ Nin/\k

where we have used HH” = +(HH")? = JUA*U" to obtain (6.50),and {)\;} are the

1
7
cigenvalues of the Wishart matrix HH. The scaling factor n = tr(HHY) = 3% \,.
We begin with a hypothetical precoder whose transmit power is not normalized, i.e.,
n = 1. The outage probability of this un-normalized precoder is similar to that of the
MMSE receiver with no precoding at the transmitter, as given in (6.46), except that the

eigenvalues are now squared. Thus similarly to (6.47), we have the exponential inequality

Qak—l
1 p ap < 0.5
— = : (6.51)
1+ &N
N 1 ay, > 0.5

The analysis of [5] then follows and we have

d = %((m—ﬁ]u (M—N)[Mz—zﬁ). (6.52)
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We conclude that the un-normalized matched filter precoding with MMSE receiver results

in 50% diversity loss compared to MMSE receiver with no transmit precoding.

For the normalized precoder, we begin with the outage probability in (6.50). Assume

a1 = ag -+ = ay, the sum term in (6.50) is given by

N 1 N 0
;HNLM 2T

P ™

1 Zl pr+ ]ﬁvpdak

p—n
p—aN'+_p1—2ak'

I
M-

k

M-

(6.53)

i

1
where we have used the fact that the >, p™® is dominated by the maximum element at
high SNR. It is easy to see that the terms of (6.53) are either one or zero at high SNR,
depending on whether p=®~ asymptotically dominates p'~2% or vice versa. These two cases
are delineated with the threshold ay, < 0.5 max(1, ay+1), or, considering that ayy is positive,

< 0.5(ay + 1). Thus at high SNR, the outage probability is evaluated by counting the

ones

I
~
/\
—_
WV
2
N
2|
SN—

a>0.5 (an+1)

( > 1::L> (6.54)

aE>0.5 (any+1)

Il
|

where L = (N 2*%] The conversion from inequality to equality in equation (6.54) follows

from arguments developed in [5, Section III-A] .

Therefore, the outage probability is asymptotically evaluated by:

Po = / P(a) da (6.55)

where P(a) is the joint distribution of the ordered oy > -+ > ay and the region of integra-

tion is defined as ST = S NRY*, where S is given as follows:
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e If L = N, then we seek the probability that aj, > $(ay +1) for k =1,..., N, which

implies ay € (1,00). Thus the integration region can be tightly represented as:

S = {04]\[ >1, 121}1€1<11N0é1€ > 0.5(0&]\[ + 1)}

o If L < N, then we seek the joint probability that oy > %(ozN +1)for k=1,...,L
and o, < 2(ay + 1) for k= L+ 1,..., N, implying ay € (0,1). Thus the region of

integration is represented as:

S={ay <1, min a;>05(ay+1), max a,<0.5(ay+1)}
1<k<L L<k<N

Using methods similar to 2] and [5, Eq (18) - (20)], exponential equality relations can

be used to reduce the integrand to the following:
Py = / Hp*(Qk—1+M7N)ak () (6.56)
s+

First we consider L. = N. The probability expression is evaluated by simply taking the

integral over all variables except ay, and then taking an integral over ayy.

0o N-—1
Pout :/ p—(QN—1+M—N)aN H p—(Qk—1+M—N)(O‘5+0.5OLN)d(a> (657)
an=1 k=1
N
- Hp—(2k;—1+M—N)
k=1
_ T Gk (6.58)

= p MV, (6.59)
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When L < N, we repeat the same integration strategy.

1 N
P, i/ p—(2N—1+M—N)aN H (1_p—(2l—1+M—N)(O.5+O.5aN)>

~N=0 I=L+1
L
o H =T M=N)05+0508) g ) (6.60)
k=1
) L
B / - @N=1+M=N)ay Hp—(Qk—1+M—N)(0-5+0-5aN)d(a) (6.61)
aN=0 k=1

L
- H pf%(2k71+M7N)

k=1
_ pSh b
— p HIAHM-ND) (6.62)

In deriving (6.60) and (6.61) we have used fab p~**d(ay) = p~** [5]. Equations (6.59)
and (6.62) show that the system exhibits two distinct diversity behaviors based on whether
L= (NZ’%} < N. We can solve to find the boundary of the two regions R = N log %

To summarize:

_R _R
s L(IN27N]2 4+ (M — N)[M27~]) R > Nlog - (6:63)

MN otherwise

Remark 6.2.2 The outcome is interesting for its practical implications: An MMSE receiver
working with matched-filter precoding will suffer a significant diversity loss compared to an
MMSE receiwver without precoding, except for very low rates corresponding to R < N log %,
where the combination of MMSE receiver with matched filter precoding has exactly the same

diversity as the MMSE receiver alone.

Remark 6.2.3 Recall that R = N log % 18 exactly the same threshold below which matched

filter precoding (without receiver-side equalization) achieves full diversity.
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WFTx Precoding
Using the Wiener filter precoding at the receiver results in the composite channel
H=HT = gHHY(HHY + p~'NI)™'.
Using the eigen decomposition HH? = UAU# | it can be shown that
HYH = B*U(A + p ' NI)2A2U# (6.64)

Similar to the case of MF precoder with MMSE receiver, the outage probability of WF

)

:P(i; > NQﬁ) (6.65)

1 1+ NLnAk

precoder with MMSE receiver is given by (c.f. (6.49))

2|

P, = IP’(tr(I + %HHH)* > N2~

where {\;} are the eigenvalues of HPH and 7 is the scale factor. Using (6.64), {\,} are

given by
. A2
N=— Tk k=1,... N 6.66
T Ow + pIN) (6.66)

The scale factor 7 is calculated as in (5.35)

A

N
— (N +pIN)

n:

Thus the outage probability can be written as

R

N
P = IP’(Z% > N2N) (6.67)
k=1

where

—_

p'n o py

L+ &N p i+ i P E

A
Ve =
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where we define v, = %j\k We now proceed to express both p~'n and vy, in terms of {ar},
the exponential orders of {\;}.

N l—a

_1)\ N
-1 _ l
p 77 Z( 1)\Z+N Z 1 al+N)

=1 =1

- Z plfal + Z pal*l (668)

a;>1 ;<1

observe that all the terms in (6.68) have negative exponent. Using (6.66),

—2ay

p
(p=e 4+ p=IN)?
p2(1_ak)

(plmo + N)?

- {1 wsh (6.69)

p2(1_ak) Oék > 1

V. =

zl= ==

From (6.68) and (6.69), we see that when oy < 1 then vy + p~'n = v, = 1. On the other

hand, when a4 > 1 then

Vg +p—177 - p2(l—ozk) + Zpl—al + Zpal—l

a;>1 o<1
_ p2(1—o¢k) +p1—ak + Zpl—al + Zpal—l
a;>1 o<1
Ik Ik
- pl—ock + Z pl—az + Z pOtl—1 (670)
a;>1 o<1
I#k I#k
=p'n (6.71)

where (6.70) follows because o > 1. Thus we have

1 -1 1
P ) o<
M= — o - (6.72)
P Ok 1 ap > 1

and p~!n has negative exponent thus vanishes at high SNR.
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Observe that (6.72) is similar to (6.47) which corresponds to the case of the MMSE-only
system (i.e. with no precoding). Thus substituting (6.72) in the outage probability (6.67)
and repeating the same analysis of the MMSE-only system as in [5], we conclude that the
diversity of the MMSE receiver when using WFTx precoding is the same as the diversity of
the MMSE receiver with no linear precoding, which is given by (5.75).

RZF Precoding
Using the Regularized Zero Forcing precoding at the receiver results in the composite channel
H=HT = sgHH?(HH” + cI)™*

where ¢ is a fixed constant, § = 1/n and 7 is given by (5.35)

N
; Al+c Z alﬂ (6.73)

=1
Similar to (6.65), the outage probability of RZF precoder with MMSE receiver is given
by

and

T e
where {)\;.} are the eigenvalues of H?H given by

s Az B p—QOck

A = - . k=1,...,N 6.74
F (M +0¢)?  (p~ +¢)? ( )

Notice that at high SNR we have
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Thus the SINR is given by (c.f. (6.53))

N —a o
Tk = Zl:l P - pN
le\il p_al + p—206k p—OéN + p1_2ak )

k=1,...,N

which are the same terms as in (6.53), implying that the outage probability of the MMSE
receiver working with the regularized zero-forcing precoder is asymptotically the same as the
outage probability of the MMSE receiver working with the matched filter precoder. This

means:

dRZprMMSE — dMFPfMMSE

- L(N2"N]2 4 (M - N)[M2"%]) R > Nlog %+ 6.75)
MN otherwise

6.3 Simulation Results

This section produces numerical results for the outage probabilities of ZF, regularized ZF
(RZF), matched filter (MF) and Wiener precoding systems under ZF and MMSE equaliza-
tion. Figure 6.2 shows outage probabilities for a 2 x 2 and a 3 x 2 MIMO system with
matched filter precoding and ZF equalization. The observed diversity values are consistent
with Eq. (6.41). Figure 6.3 shows outage probabilities for a 2 x 2 and a 3 x 2 MIMO system
with Wiener filter precoding and ZF equalization. Figure 6.4 and Figure 6.5 show outage
probabilities for a 2 x 2 and a 3 x 3 MIMO system, respectively, with Wiener filter precoding
and MMSE equalization. The diversity for the 3 x 3 system is the same as the diversity of
the Wiener filtering precoding-only (c.f. Figure 5.3).

Figure 6.6 shows the outage probability of a 2 x 2 MIMO system with matched filter
precoding and MMSE equalization, which is consistent with Eq. (6.63). We also plot the
outage probability of the MMSE MIMO equalizer (without any precoding) for comparison.
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4 bis/Hz
2 b/s/HZ

1 bis/HZ

R
(6]

(@)
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) 4 blsiHz
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10°F 3 blslHz

1 b/s/Hz
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10°F
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SNR

Figure 6.2. MIMO system with matched filtering precoding and ZF equalization for rates
(left to right): R = 1,2, and 4 b/s/Hz. The diversity is d = 0.5 for a 2 x 2 MIMO system
and d =1 for a 3 x 2 MIMO system.

6.4 Conclusion

This chapter obtains various results for the diversity in the presence of both precoding and

equalization.

6.5 Appendix

6.5.1 Proof of P(\, > ¢) = O(1) for any !

Define a Wishart matrix W using the Gaussian matrix H.

HH?” M>N
W = .
HH NN

Let n = max(M, N) and m = min(M, N). The matrix W is m x m random non-negative

definite that has real, non-negative eigenvalues with Ay > --- > \,,0. The joint density of
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2X2 system
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Figure 6.3. Outage probability of MIMO system with Wiener filtering precoding and ZF
equalization for rates (left to right): R = 1,2, and 4 b/s/Hz. The diversity is d = 1 for a

2 x 2 MIMO system and d = 2 for a 3 x 2 MIMO system.
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Figure 6.4. 2X2 MIMO system with Wiener filtering precoding and MMSE equalization for
rates (left to right): R = 1.5,3, and 4 b/s/Hz. The diversity d = 1 for R = 3 and 4 b/s/Hz,

and the diversity d =4 for R = 1.5 b/s/Hz
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Figure 6.5. 3X3 MIMO system with Wiener filtering precoding and MMSE equalization for
rates (left to right): R = 1.5,4, and 5 b/s/Hz. The diversity is the same as the diversity of
Wiener precoding without MMSE equalization which is given by (5.75).
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Figure 6.6. 2X2 MIMO system with MF precoding and MMSE equalization system for
rates (left to right): R = 1.5,2.5, and 3 b/s/Hz. The diversity can be easily verified from

Eq. (6.63).
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the ordered eigenvalues is [17]

f) =K, Le ZAHA” T =2 (6.76)

1<j

Thus the marginal distribution of )\; is given by [17]

() = / /f Y dhs. .
:—Zgﬁl)\l )\nmi}\l

where

k! 1/2
@k+1(>\) = {m} LZ_m()\), k‘:O,,m—l

where L} ™ (z) = e*a™ " " (e~rgn=mtk) (with Ly = 1) is the associated Laguerre poly-

1
k! dzF
nomial of order k.

We now compute IP’()\z > f),

o0 q m
= / ~ D @i(N)PATTme AN,
§ i=1

> 1
> / — o1 (N)PAT e M),
¢ m

[T L ypmean
¢ m(n—m)" :

(e g ).
=———| —eTMAITT —e” lZnn—l (n—k4+ 1A
m(n —m)! — ¢
(6.77)
1 n—m
=———— ("™ +e Y nn-1)...(n—k+ 1)k (6.78)
m(n—m)!( ; )

where (6.77) follows from [27, Section 2.32]. The right hand side of Eq. (6.78) is a non-zero

constant bounded away from zero. This concludes the proof.



CHAPTER 7
SINGLE-CARRIER EQUALIZER WITH MULTI-ANTENNA TRANSMIT
DIVERSITY

7.1 Introduction

Single-Carrier Frequency Domain Equalization (SC-FDE) is an alternative to OFDM that
avoids several OFDM drawbacks, including peak-to-average power ratio and the high sensi-

tivity to carrier frequency offset [44]. SC-FDE has been adopted for the LTE uplink [44,45].

In this chapter, we analyze the performance of SC-FDE in conjunction with either cyclic
delay diversity (CDD) or Alamouti signaling, fully characterizing the diversity as a function
of transmission-block length, data rate, channel memory, and number of antennas. In the
process, we obtain a threshold rate (as a function of data-block length, channel memory,
and number of antennas) below which the full spatial-temporal diversity is achieved, while
at higher rates the diversity of both schemes diminishes, albeit not in quite the same way.
Our analysis shows that at high rates the CDD diversity degenerates to the diversity of the
SISO SC-FDE, while Alamouti signaling provides twice the diversity of SISO SC-FDE.

We find that beyond a certain rate threshold in either CDD or Alamouti signaling, an
increase in transmission rate can reduce the diversity, but this diversity can be recovered by
increasing the FFT block length. Specifically, in this operating regime, the diversity can be
maintained if every additional bit/s/Hz of transmission rate is accompanied by a doubling
of FFT block length. Naturally the block length cannot exceed the coherence time of the

channel, therefore equalizer performance is in practice also limited by the coherence time.

A brief survey of related literature is as follows. It has been known that SC-FDE in single-
antenna (SISO) systems displays a diversity that is a function of data rate and transmission

block length (hence the FFT size) [15]. The behavior of SC-FDE has also been analyzed

115
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in multi-stream (BLAST-type) MIMO systems, where its diversity multiplexing tradeoff
(DMT) and bounds on its diversity have been obtained [46]. Al-Dhahir [20] proposed the
Alamouti SC-FDE, but [20] only went so far as to show that the effective channel gain of
Alamouti SC-FDE is a sum of two independent components, which only suggests that the

diversity is at least two. The present work conclusively settles the question of the diversity

of Alamouti SC-FDE.

Design rules are provided in [47] for achieving maximum diversity gains with linearly pre-
coded OFDM but it requires ML decoding. Tepedelenlioglu [31] showed that linear equalizers
achieve the maximum multipath diversity in linearly precoded OFDM systems. The zero-
padded SC system with linear equalization was analyzed in [48] where it was shown that the
full diversity is achievable by ZF equalizer. Muquet et al. [22] compared the performance
of ZP-OFDM and CP-OFDM. Coded OFDM (COFDM) schemes were considered in [49],
showing that COFDM achieves the maximum channel diversity with ML decoding. It was
shown that the zero-padded and cyclic-prefix single-carrier system are special cases of the

COFDM of [49] and thus achieve the maximum diversity with ML.

This chapter is organized as follows. Section 7.2 provides the system model for cyclic-
prefix transmission and reviews the recent result for the SC MMSE-FDE receiver diversity.
Section 7.3 provides the performance analysis for the CDD systems. Section 7.4 provides the
performance analysis for the Alamouti (orthogonal-space time coded) systems. Section 7.5

provides simulations that illuminate our results.

7.2 Cyclic-Prefix Transmission

7.2.1 System Model

We consider a frequency selective quasi-static wireless fading channel. The equivalent base-
band model for this inter-symbol interference (ISI) channel is given by a multipath model
with v paths. The channel vector is denoted by h = [hy, ..., h,] and the channel coefficients
are assumed independent and identically distributed ~ CN(0,1). We assume a block-fading
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model where the channel is fixed over the transmission block. To remove the inter-block
interference at the receiver, a cyclic-prefix (CP) with length at least v is inserted at the
beginning of each data-block of length L. The CP also transforms linear convolution into
circular convolution and thus permits channel diagonalization. The input-output system

model for a block transmission scheme with length-v CP is

y=+vpHx+n (7.1)

where x € CEH*1 v ¢ CIX1 and n € C V%! denote the transmitted, received and noise
vectors respectively. The noise vector is assumed white, Gaussian, and zero-mean with
covariance matrix 021 and p is the transmitted signal power. Without loss of generality we
assume o2 = 1. The matrix H € C?*(5#¥) is the convolution channel matrix. The linear data
extension operation that maps the data block, denoted by s, of length L to the transmitted
vector of length L 4 v can be expressed by x = U, § where U, is the CP matrix given by

1
U, = -
Il/ 01/><(L—1/)
Hence the model in (7.1) is equivalent to:
y=+vpHU,5+n=,/pHes5+n (7.2)

where He = HU,,, is the equivalent L x L circulant channel matrix. given by

ho hy h, 0 0
0 hy M h,, 0

H, = (7.3)
hiy hy -+ h, 0 - ho

Note that H has eigen decomposition He = Q7 AQ where Q is the unitary discrete Fourier

transform matrix. The diagonal elements of A are given by [15]

Ap = Z hie_jm(f_l) fork=1,...,L.
i=0
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In single-carrier frequency domain equalizer (SC-FDE), the DFT/IDFT operation is per-
formed at the receiver. The DFT/IDFT in the SC-FDE diagonalizes the channel thus a
single-tap equalizer can be used, reducing the complexity of equalization. The DFT-domain
version of Equation (7.2) is

Y=Qy=,pAS+N (7.4)

where S, Y and N are the DFT of the transmitted, received and noise vectors respectively.

Assuming perfect channel state information at the receiver (CSIR), the linear zero-forcing

(ZF) and MMSE equalizers are given by [13]:
W = (c p 'T+HH) 'HY (7.5)

where the constant ¢ = 1 for MMSE equalizer and ¢ = 0 for ZF equalizer. The matrix H is

the channel to be equalized. The corresponding unbiased decision-point SINR is

1
eI+ pHPH),!

f)/k‘:< C kzl,,L

For completeness we mention the definition of the diversity gain

log P,
42— lim 22 (7.6)
p—oo logp
and the outage diversity
log P,
Ay 2 — lim — 10wt (7.7)
p—oo logp

where P, is the pairwise error probability, P, is the outage probability given by P, £
P(I(x;y) < R).

7.2.2 The Diversity of the MMSE Receiver in SC-FDE System

In [15] the linear MMSE receiver is analyzed for SC-FDE, a result that we shall refer to
later in this chapter and therefore we review it here briefly. In [15] the received signal after
equalization is given by

y =Wy =,/pWH. + Wn. (7.8)
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and subject to this model it was shown that MMSE SC-FDE can achieve full diversity for
certain values of block length and operating rate R b/s/Hz. The process of developing this

result was as follows.

The analysis performed in [15] consists of two main steps. The system outage diversity
is first characterized. Then lower and upper bounds on the error probability via outage are
provided. It is shown in [15] that these two bounds are tight and thus the diversity is fully
characterized. This two-steps approach was first proposed in [2] due to the intractability of

the direct pairwise error probability (PEP) analysis for many MIMO architectures.
The diversity of the MMSE SC-FDE is [15]

v+1 R < log%
Aoyt = (7.9)

27FL]+1 R>logk
7.3 Cyclic-Delay Diversity

One common transmit diversity technique used for single carrier and multicarrier systems
is antenna delay diversity, which can take the form of time delay, cyclic delay and phase
delay [50,51]. Among them, cyclic delay diversity (CDD) is more widely adopted for single
carrier and multicarrier applications as CDD can be applied to any number of transmit
antennas without any rate loss or change in the receiver structure [51-53]. In this section
we show that linear MMSE receivers can achieve the maximal spatio-temporal diversity

provided that the equalizer and the cyclic delay taps are properly designed.

System Model

Consider a MISO system with M transmit antennas and a block fading channel model where
the channel remains unchanged during the block transmission. The channel impulse response
from the transmit antenna i to the received antenna is given by h; = [h;p, ..., h;,,] with
channel memory length denoted by v;. We also define v = max; v;. We adopt the system

model of [51]. The model is shown in Figure 7.1 which displays the front end of a single



120

So(K) l_l Sok) Y
<P

5:(k) sik) v
D > Remove

CP

Input Data___| SC/IMC S(k) L
Sequence Modulation NIV

]

™| Equalizer [™| Detector

g""'l(k)@ SM-l(k) Y

£

Figure 7.1. Single-carrier and multicarrier MISO system with transmitter sided CDD scheme
and the proposed MMSE receiver.

carrier and multicarrier MISO system with CDD. In vector form, the received signal can be

written as
M-1
i=0
where H; is an L x L circulant channel matrix whose first row is [hig, - . ., hiu,, 0,...,0], 5 is

the L x 1 transmitted data-block (without the CP) from transmit antenna i. CDD converts
the MISO channel into a SISO channel with increased channel selectivity. The model can

be written as [52]

y=+vpHus+n=,pQ"AQ35+n (7.11)

where Hg;, is L X L circulant matrix, s is the L x 1 modulated symbols (cf. Figure 7.1), Q
is the L x L normalized DFT matrix, and A is a diagonal matrix whose diagonal entries are

the DFT point of the first row of Hg;, which are given by [A(0), ..., A(L — 1)], and

M-1

hl - z modL (712)
=0

A

ﬂ\H

The selection of the delay samples {6;} and its impact on the data rate, the signal-to-
interference-and-noise ratio (SINR) and maximum achievable diversity is studied in [52,54].
While the CP length is independent of d;, it must be no less than the maximum channel
delay spread v [54]. Also for the receiver to exploit the full diversity the delays can be chosen
as 0; > 0;_1 + v [52] or simply §; = id with 6 > v [53].



121

Diversity Analysis of MMSE Receiver

We first consider the case where v; = v = 0Vi (i.e. flat MISO channel) and the symbol
delays 0; = 4. In this case, the system model is equivalent to a SISO ISI channel under CP
transmission. If the equalizer is designed according to Hg,, it is known that in the SISO
ISI CP transmission a rate-dependent diversity is observed [15], and due to equivalence of
channel models this result can be directly lifted to the flat MISO CDD system. This result
will be extended to the general case of the multipath MISO channel under CDD.

For a flat channel (v; = 0Vi) and the delays d; = 4, it can be shown that the first row
of the L x L circulant channel matrix He, is [ho, b1, -+ , har—1,0, -+ ,0] where the channel

entries {(I)} are given by (7.12). The equalized signal is
¥ =/pW Hy, 5+ Wn. (7.13)
The system model in (7.13) is equivalent to (7.8) and we have the following lemma.

Lemma 7.3.1 Consider the M x 1 MISO flat-fading channel. The diversity of the MMSE

receiver under uncoded CDD transmission and L data-blocks is given by

L
-1

d —

127 L] +1 R >log
Remark 7.3.1 Note that the uncoded CP systems can suffer from loss of multipath diver-
sity [55]. However if a linear receiver is used and the system parameters (rate, transmit
antenna delays, and FFT block length) are appropriately designed, Lemma 7.3.1 indicates
that the maximum diversity can be achieved. Specifically, the maximum diversity is achieved

when

L2278 +1>M or R<log £ Ry, (7.15)

M—1
For any given values of R and M, the data block length L can be chosen such that R < Ryy,.
Therefore if we have flexibility in assigning data block length, mazimum diversity can always

be achieved.
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Remark 7.3.2 The developments in this chapter do not depend on whether the equalization
matrix W is multiplied by the received data in the time domain, or is applied in the frequency
domain (via FFT/IFFT). Both approaches lead to the same SINR and outage. Therefore, the
results of this chapter are valid for single-carrier systems regardless of whether the receiver

operates in the time domain or frequency domain.

We now consider the second case: the frequency selective channel, ie., v; # 0. The
delay taps are chosen such that §; = n;0 with § > v and {n;} are distinct integers, and the
block length L is chosen such that the transmitted blocks 5; are distinct. Notice that the
condition on the block length guarantees that the channel coefficients seen at the receiver
are independent. Thus the delay taps and the block length L must be chosen to satisfy two

conditions
L>Mw+1). (7.17)
We now consider the following case': v; = vVi, §; = i(v + 1). It can be shown that this

system is equivalent to (7.13) where the variable M in (7.13) is replaced by M (v +1). Thus

we obtain the diversity

Mv+1) R<logmrtrne
d— (M(v+1)-1) (7.18)
_ L
The maximum diversity is achieved when
L A
R <log ——— = Ru. (7.19)

My+1)—1

Other choices of {0;} that satisfy (7.16) exist. Each of these choices yields a new Hg,

whose first row is a permutation of the first row of H;, under §; = i(v +1). We thus have L!

'We assume v; = v for simplicity. The general case can be obtained in a straightforward
manner.
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different choices for the set {d;}. Since these circulant matrices have different structures, the
diversity analysis of [15] does not directly follow. We study the diversity of these systems
and show that the L! — 1 remaining choices {¢;} yield the same diversity as shown in (7.18).

The outage probability of the system model in (7.13) is given by [15]

L

1
P,=P — > I27R
' (Z 1+ p|Ae|? )

k=1
where \;, are the eigenvalues of H;,. Since each eigenvalue is a linear combination (DFT
points) of channel coeflicients h = [hg hy -+ har(41)-1) then the eigenvalues {\;} obey a
zero-mean complex Gaussian distribution. In the special case L = M (v + 1) the eigenvalues
{A\x} are independent and it can be shown that [15]

M(v+1) .
Pout = P( ; m > L2_R> =p? (7.20)
where d is given by (7.18).
Now let L > M(v + 1) and 6; = i(v + 1). The channel matrix is circulant with first-row

vector h) = [hg--- Paiw+1)-10...0] and the corresponding eigenvalues {/\S)}ﬁ:l are the

DFT points of this zero-padded channel vector h™). In this case, [15, Lemma 2] applies and

we have
L M(v+1) 1
o) = P( L m)
(™) =P X
=p e (7.21)

where m = L27F and d is given by (7.18).
We now continue with L > M (v + 1) but we discard the assumption ¢; = i(v + 1).
Instead, the delays {0;} are only required to satisfy (7.16). In this case the zero-padded

channel vector is

h(2):[0"h0"0"h1"0"hM(u+1)—1"0]

where the locations of zeros depend on the particular choice of the {46;} via Eq. (7.12). We

have the following lemma.
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Lemma 7.3.2 The DFT of h® and the DFT of h(V) satisfy the following equality

P(Zm m) - (iwu >m) (722)

where m is a positive number.
Proof Please refer to Appendix.

Setting m = L277 we conclude from (7.21) and (7.22) that

P zL:—l >m | =p¢
)12 p

2
1 1+ P|)‘§g |

where d is given by (7.18).

Diversity Analysis of Zero-Forcing Receiver

The SINR of the ZF receiver is given by (7.5)

Vi P
[(HeHHe)_ }kkz
Lp
tr[(HeHHe)_l] (7.23)
__Le (7.24)

where (7.23) follows since H is circulant thus the diagonal elements of (HH H,)™! are equal,

and (7.24) follows from the equivalence of the trace and the sum of eigenvalues.

Let us first consider the case of L = M (v+1). In this case the eigenvalues are independent
Gaussian random variables. We perform the outage analysis for this case and then show that
the result holds for the more general case L > M (v + 1). Let aj be the SNR exponent of
the channel eigenvalues, i.e.

A log |>‘k |2
ap = — ——
log p
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The outage probability is

L
1
Pout = ]P)(Z Zlog(l + /YK) < R)
=1
L
1 L
=P >
(; plAe* 27— 1)
1 L
>P >
(v = 75)
L
=P ap—1
(> 53)
=P(ag. — 1 >0)
= ]P)(Oék > 1)
=pt (7.25)

Eq. (7.25) follows because |\;|? is exponential random variable and thus we have P(cy, >
1)=1—e* " via arguments similar to [15, Lemma 1]. We now obtain an upper bound on
outage. The outage probability can be bounded as follows.

L

1 L
P.=P >
(X )

k=1

P L > L
ming p|Ag? = 28 —1

1
— IP) max—1 >
(7> 59)

= P(amax > 1)
zl_p(g{ak < 1})
=1—[P(ay < 1))* (7.26)

where (7.26) follows since L = M (v + 1) and thus {«y} are independent. Since P(ay > 1) =
1—e? =p'then P(ay <1)=1—p~ ! and thus

1—[Plap < )F=pt (7.27)
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where we have used the fact that p=¢ 4 p= = p~ for any positive integers i and n. We then
conclude from (7.25) and (7.27) that, when L = M (v + 1),

L

1 L
P,,=P >
(X > )

k=1

=p! (7.28)
We now consider the case L > M (v + 1). We have the following lemma.

Lemma 7.3.3 Consider the MISO CDD under two transmission scenarios that are similar
i all respects except their data-block lengths L, L where we assume L > L = M(v+1). The
eigenvalues of the channel are denoted {\i} when data block length is L, and are denoted

{S\k} when data block length is L. Let m be a positive number. We have the following property

Lo LR |
P ——>m | =P ~ >m
<Z pIA|? ) (Z p| Ak |? )

k=1 k=1

Proof We start with [15, Lemma 2], which states:

L 1 L 1
P —_—>m iiP _— >m
(ZHpMkP ) (Zupmw )

k=1 k=1

We note the difference with our desired result is only a constant term in the denominators.
Close inspection reveals that the proof outlined in [15, Appendix A] goes through even
without these constant (identity) terms, therefore the proof of our desired result parallels

step-by-step the proof of [15, Lemma 2].

Thus setting m = 2R—€1 in Lemma 7.3.3 and using (7.28) we conclude that the ZF receiver

achieves diversity order one irrespective of the block length.

(Non-Cyclic) Delay Diversity

In this section we consider the more traditional delay diversity without cyclic prefix. We

establish the equivalence between the delay diversity (DD) single carrier or multicarrier
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MISO system? and the zero-padding single carrier or multicarrier SISO system. We then
apply the result of [48] which shows that linear receiver achieves full multipath diversity
for the zero-padding SISO system. In order to transform DD MISO channel into SISO ISI
channel, the delays are set to §; = i0 with 6 > v symbols. For simplicity, let 6 = v + 1
(the proof is easily extended to other cases). It can be shown that the received signal after

removing the padding is®

y=+pH5+n (7.29)

In the case of single carrier system with no CP extension [50], 5 € CL*! is the data block and
H ¢ C*! is the truncated Toeplitz channel matrix and the model is equivalent to the SISO
ISI channel under single carrier zero-padding transmission. Using linear equalizers in (7.29)
achieves the full diversity d = M (v + 1) [26,48]. In the case of multicarrier system, the
channel H € CY*F is a circulant channel matrix. Hence the result of Section 7.3 applies.

However, the DD multicarrier system incurs a rate loss compared to the CDD system

Repp 1 Nppr + dmax +V

Rpp 71 Nppr + v

where Ngpr is the DFT size [54]. The diversity gain obtained in Section 7.3 is modified to

—R’ L

d:

7.4 Alamouti Signaling

The Alamouti method of space-time signaling can also be characterized as a transmit diver-
sity scheme. Unlike the CDD system, our analysis shows that Alamouti signaling preserves

the transmit diversity and thus provides a larger diversity gain compared with the CDD

*For DD SC system, we adopt the model of [50] where there is no CP insertion.

3In the DD multicarrier system, the received signal has a CP extension (added by the
multicarrier modulator) and a ZP extension (due to the delays §;). In the DD single carrier
system the received signal only has a ZP extension.
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scheme above a rate threshold Ry,. We consider single-carrier block transmission over an
additive-noise frequency-selective channel with memory v, similar to [20]. The model sup-

ports a 2 X 1 system and can be extended to 2 x N system.

Each data-block of length L is appended with a CP of length v to eliminate interblock
(k)

interference. x;"’(n) denotes the symbol n of the transmitted block & from antenna i. At

even time slots, pairs of length-N blocks xgk) (n) and ng) (n) are generated. The transmission

scheme proposed by [20] is

xy P (n) = —x*{((—n)) (7.31)

forn=0,1,...,N—1and k =0,2,4..., (-)* denotes conjugate. A length-v CP is added to
each transmitted block. The total transmit power is divided equally among the antennas.

The transmission scheme is shown in Figure 7.2.

The received blocks at time k£ and k + 1 are given by
y\) = \/ﬁng)ng) + \/ﬁHéj)xgj) +nY for j =k k+1

where ng ) and ng ) are both circulant, and n" is the noise vector for block j. A DFT is

then applied to y¥) to diagonalize the channels as follows
YO = pAPXD 4 pAIXD £ NO for j =k k+1

where YW, XU and NU) are the DFT vectors of y¥), x4 and n'@ respectively, and A;
(for i = 1,2) are diagonal matrices containing the DFT coefficients of the channel impulse
responses. Using (7.31) and assuming the channels are fixed over two consecutive blocks

(indexed by k and k + 1), it can be shown that

A . 1
Y= st |\ Ax . | T (k1) | (7:32)
—_———

2A
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Figure 7.2. Transmission scheme proposed by Al-Dhahir for communication over frequency-
selective fading channels.

By multiplying both sides of (7.32) by the orthogonal matrix A* defined in (7.32)

Y 2 AYY =

A0 X ¥ N
VPR LR (7.33)
0

A) \vpx3"
where Y and N are the transformed receive vector Y and noise vector N respectively, and

A2 AFA + AN, is a N x N diagonal matrix whose diagonal element i is

A1 (i, ) 1 + | Mg (i, 1) . (7.34)

7.4.1 MMSE Receiver

We now show that the 2 x N Alamouti SC-FDE can achieve full diversity 2/N(v + 1) as
long as the transmission rate is below a certain threshold, and otherwise full spatio-temporal
diversity is not achieved. We fully characterize the diversity in all cases. We start by

considering N = 1 receive antenna.

The received signal for two blocks indexed by k£ and k + 1 is given by (7.32) which can

be written as
Y =,/pAX +N.
The MMSE equalizer is

W = (A"A +p7 1) AR
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In other words, the coefficients of the MMSE FDE are given by
Ab

Wyp— —kk
BT AR+ o

Performing the equalization process followed by the IDFT operation yields

- iy -1 -
v = \/EQH(AHA—l—p 1I) ATAQx; + 1y
- iy -1 .
y2 = /p QT (ATA + p7T) T ATAQx; + 0y
where n; and n, are the filtered noise signals. Assuming the transmitted vectors have equal

power, the unbiased decision-point SINR of the MMSE SC-FDE for detecting the symbol &

of the vector x; and x, are denoted by 71 and 7, and are given by

N P
Mg = Vo k= Vk = -1,

[(p~' T+ QH/N\Q)_I]M@

Observe that all v, are equal because the matrix Q AQ is circulant. Thus i can be written

as

p
— -1
Ttr(p~' I+ QITAQ)!
p
Ttr(p T+ A)~?
1
- 1. (7.35)

The mutual information is given by

L
Inivse = Zlog(l + )
=1

= Llog(1 + k) (7.36)
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the eigenvalues S\k are the diagonal elements of /~\, and are given by S\k = |)\17k\2 + \)\g,k\Q
where),; j, are the eigenvalues of the channel H; for i = 1,2 (cf. Equation (7.34)). The outage
probability of the MMSE receiver the is given by

1
Py = P(Z[MMSE < R)

- p(i ! > L2—R>. (7.37)

Similar to the SISO analysis presented in [15], we first consider the case when L = v + 1
and later extend it to the other cases when L > v + 1. When L = v + 1 all the elements
of {Ay(k,k)} and {Ay(k,k)} are iid. Gaussian variables and hence the eigenvalues {A}
obey the Gamma distribution with shape parameter M = 2 and scale parameter 1, i.e.
Ai ~ T(M,1). When L > v + 1 the elements {A;(k, k)}i—1 2 are no longer independent and
thus analyzing this case requires the unknown distribution of {\;}. Instead, we indirectly
show that the diversity of L = v + 1 also holds for L > v 4+ 1. We continue with the case
L=v+1

~ A log\
Let ay, = —%’\p’“, we have

1
1+,05\k ]__|—p1_54k.

Observe that the term l—i—p+dk is either zero or one at high SNR depending on the value of
aye [15]
1 pla <1

lim — =
p—00 1 + p)\k 1

ap > 1
therefore to characterize the sum ), ﬁ in (7.37) at high SNR, we basically count the

ones. The outage probability can be written as

L

1
P..=P N
O w Y

k=1

=P() 1>127"). (7.38)

ap>1
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A rigorous proof for (7.38) follows similarly to [5, Section III-A]. We thus need to evaluate
P(& > 1). The probability density function of A, is

f3,(x) = F(;\/.l) M te, (7.39)

where ['(M) = (M — 1)! is the Gamma function.

We want to evalaute the probability P(d, > 1) which is the same as P(A\, < p~').
Using (7.39) we have

P <ph) = 5 (z) dx
0
1
= m/ IM_le_zdl’ (740)
0
M-1
1 _ 1 M p_l
-} <F(M) . %) (7.41)
k=0
M-1
=1 pk—' (7.42)
k=0

where we have evaluated the integral in (7.40) according to [27, P.336]. Thus we have

Play >1) =P\, < p7h)

M-1 !
1
=loet 20y
k=0
. I _
=1-(1- il ) (7.43)
=p M (7.44)

where (7.43) follows from the Taylor expansion of the exponential function in (7.42) and the

fact that p~' + p~™ = p~% for any positive integers i and n.

From the independence of {)\;}, and subsequently the independence of {@;}, we conclude

that M(a) in (7.38) is binomially distributed with parameter p=. Hence, similar to [15],
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we have

k=1 L+ pAk
L
= > PM(@) =9
i=[L2-E|+1
L
L . 4
-~ Z ' prz (1 . pr)nfz

i=|L2-R]+1 \ ?

= M2 R4,

which concludes the proof for L = v + 1

For the case of P > v + 1, we will need the following lemma.

Lemma 7.4.1 Consider the MISO Alamouti signaling given by (7.31) under two transmis-
ston scenartos that are similar in all respects except their data-block lengths Ly, Lo where we
assume Ly > Ly = v+ 1. The eigenvalues of channels Hy and Hy are denoted {\1 1} and
{Aak} respectively when data block length is Ly, and are denoted {Xlk} and {S\Zk} when data
block length is Lo. We have the following property

Ly
1
P > LQ—R)
(Z (T+ p ([ Akl® + [A2]?)

k=1

Lo

1
= ]P’(Z _ _ > Lz—R)
i (L4 p (JALe* + [ Aok]?)

Proof The proof is similar to [56, Lemma 11].

Thus the data block length does not affect the diversity of 2 x 1 Alamouti scheme under

MMSE SC-FDE is

2(v+1 R <logtk
DR Z (7.45)

2(127FL] +1) R>logk.
where L is the data block length.
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Remark 7.4.1 The result above shows that the Alamouti SC-FDE provides twice the di-
versity of SISO-SC-FDE. At first sight this result seems to be a straight forward product
decomposition of a so-called “transmit diversity,” i.e., a factor of two due to Alamouti sig-
naling, and a term due to SC-FDE [15]. However, it is important to note that the problem
was not fundamentally separable, therefore the results could not be deduced from [15, 20]
without a proof, because the distribution of the summation of eigenvalues squared in [20, Eq.
(11)] is needed before one can make a conclusive statement about the overall diversity of the
system. This subtle point can be further appreciated by noting that diversity in frequency-
selective channels cannot in general be decomposed into separate components, e.q., due to
the transmitter signaling and otherwise. For example in the earlier case of CDD, the diver-
sity was not a multiple of the diversity of SISO SC-FDE.* Thus, the result above was not

preordained, even though its form is unsurprising.

The analysis can easily be generalized for N > 1 receive antennas. The outage in the case
of N receive antennas will depend on eigenvalues \; 2 S°2N | Aik|? that have distribution
N ~ (2N, 1). Following a similar line of reasoning as earlier, full diversity is achieved when
R <log % More broadly, the diversity for all spectral efficiencies is given by the following

theorem.

Theorem 7.4.2 In a 2 X N quasi-static frequency-selective channel with channel memory

v, using Alamouti signaling given by (7.31) the diversity of the MMSE-SC-FDE is given by

2N (v +1) R<logk
d= (7.46)

2N([27FL] +1) R>logZ.

where L is the data block length.

4There are also other examples showing the non-decomposability of diversity in frequency-
selective channels, e.g. [56].
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7.4.2 Zero-Forcing Receiver

We now analyze the zero-forcing equalization for Alamouti transmission. It can be shown
that the outage probability is

L

Poutzp(z L. ZRL_1> (7.47)

k=1 p:\k

with Ap = [ A1 x|2 + [ Aox|?, and A is the k-th eigenvalue of the channel H; (i = 1,2) and )
obey the Gamma distribution. Similarly to Section 7.3, it is straightforward to show that

the diversity of the ZF receiver is only d.; = 2. The analysis details are omitted for brevity.

7.5 Simulation Results

Figure 7.3 shows the outage probability P,,; for the MMSE receiver in the CDD CP MISO
flat fading channel with 3 transmit antennas, under various choices of the cyclic delay taps.
The rate is R =2 b/s/Hz and L = 5. In this case, the MMSE diversity is two (as predicted
from (7.18)) since this rate is greater than Ry, given by (7.19). Figure 7.4 compares CDD-
CP and DD-without-CP systems in a 2 x 1 MISO flat fading channel. The latter system is
equivalent to zero-padding transmission over a SISO ISI channel with three channel coeffi-
cients and thus achieves the full diversity for all rates [48]. However, the CDD CP-system
only achieves full diversity for the rates that satisfy (7.19).

Figure 7.5 compares the performance of zero-forcing and MMSE receivers in 2 x 1 Alam-
outi transmission for block-length L = 4. The diversity of the ZF is two for all rates R,
whereas the diversity of the MMSE is greater than or equal to two depending on the value
of rate R (cf. Eq. (7.45)).

Figure 7.6 compares the performance of zero-forcing receiver in 2 x 1 CDD and 2 x 1
Alamouti transmission wth v = 1. The diversity of the ZF-CDD is one whereas the diversity

of the ZF-Alamouti is two. The diversities of both systems are independent of R.
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Figure 7.3. The Outage probability of SC/MC CDD MISO under flat fading with three
transmit antennas and R = 2 b/s/Hz.
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Figure 7.4. Performance of single-carrier delay diversity (DD) and cyclic delay diversity
(CDD) in 2 x 1 MISO under flat fading and R = 1,3.5, and 10 b/s/Hz.
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Figure 7.5. The outage probability of zero-forcing and MMSE receiver in 2 x 1 Alamouti
system, L =4, v =1 and R = 2,4, and 6 b/s/Hz.
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Figure 7.6. The outage probability of zero-forcing receiver in 2 x 1 single-carrier CDD and
Alamouti signaling with » =1 and R =2,4,6 b/s/Hz .
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This chapter analyzes the single-carrier frequency domain equalizer (SC-FDE) for two com-

mon transmit diversity schemes: cyclic delay diversity (CDD) and Alamouti signaling. We

characterize the diversity for both schemes at all spectral efficiencies.

In the process, we

obtain a threshold rate (as a function of data-block length, channel memory, and number

of antennas) below which the full spatial-temporal diversity is achieved. Our analysis shows

that at high rates the CDD diversity degenerates to the diversity of the SISO SC-FDE, while

Alamouti signaling provides twice the diversity of SISO SC-FDE.

7.7 Appendix

7.7.1 Proof of Lemma 7.3.2

Recall that the channel vectors h®® and h® are given by

h(l) = [hO hl e hM(V+1)*1707 e 70]

h® — [0 hg-+0--hy--0-hyriny-1--0]
and the corresponding DFT vectors are respectively given by
27r7, k: 2mi(k—1)
Zh fork=1,...,L
27r1(k 2mi(k—1)
Zh r fork=1,..., L.
Note that {h, ..., hM(u+1)—1} comprise the non-zero elements of both h'

(7.48)

D and h®, The

channel coefficients {h;} are assumed independent and identically distributed circular com-

plex normal random variable with zero mean. Thus the vector h = [hg hy ---

obeys the complex normal distribution CA/(0,T’) given by

F0) = s g

M) det(T)

h

M(v+1)—1]

(7.49)
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where the covariance matrix I', considering that h is a row vector, is given by I' = E[h#h].

We now construct a vector h that has the same distribution as h

1 14 0 1001w
h = [hoe] 0 hlej ... hM(I/Jrl)*le] M( +1)]

—ho (7.50)

where the matrix © is a diagonal matrix that has {7%} on its diagonal, and {6;} are arbitrary
real-valued constants. Eq. (7.50) shows that h is a linear transform of h. Thus h obeys
CN(0,07T©). However, since the coefficients {h;} are independent, the covariance matrix

I' is diagonal and we have

ofre = efler
=T. (7.51)
Therefore
h ~CN(0,T). (7.52)
We thus have
=
h=h (7.53)

where £ denotes equality in distribution.

Define a vector h® that is of length L via appropriate number of zero-padding in arbitrary

locations of vector h, for example:
h® 2 [() h0€j90 00 h1€j91 0---0 hM(V+1)_1€j9M(u+1> 0]_

Let {A\{”’} be the DFT of h®

14
_s2mi(k—1)

A =N w6y e T fork=1,... L. (7.54)

=0

Note that
h® <L KH®
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and therefore
< d
O£ ) (7.55)

The phases {6;} can be chosen such that for k =1,... L,

v

25(2)@) p—i = Zh(l)(i) o—i =
i=0 i=0

=AW (7.56)

Using (7.55) and (7.56) we get

Therefore



CHAPTER 8
LATTICE-REDUCTION AIDED EQUALIZATION

8.1 Introduction

The main problem with zero-forcing equalization, which also manifests itself in the system
diversity, is noise enhancement. When H, is near-singular, zero-forcing amplifies the noise
strongly along the smaller eigenvectors of the channel, causing difficulties for the detector.
One way to address this problem is Lattice Reduction (LR) [57,58]. In this section we show
that lattice reduction aided equalization achieves full diversity. We begin with a short review

of LR-aided detection.

The orthogonality of a matrix H can be quantified using the notion of orthogonality defect

defined as [59]
(1o [[[bal . . [Tbare,|*)

5 p—
det HFH

(8.1)

where H = [b; ... byy,]. Moreover, the orthogonality defect can be bounded as follows [59]
1 <6< c=22MhalMLa1), (8.2)

If the matrix H has orthogonal columns then H#H is diagonal and thus using ZF equalizer
yields same performance as the ML detector, since the decision regions in both cases are the

same. However, since H is in general not orthogonal, linear equalization does not perform

as well as ML.

Lattice reduction finds a mapping of the lattice onto itself so that from the viewpoint
of the detector, the columns of the transformed equivalent channel are near-orthonormal.

More specifically, lattice reduction finds a unimodular! matrix T such that H = H,T is

'A unimodular matrix is has the following property: the entries of both the matrix and
its inverse are complex integers and det(T) = 41 or +j.
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approximately orthogonal.? The process is as follows:

y=Hx+n=HT)T 'x+n (8.3)

X

Denoting with Wz the ZF equalizer for the reduced channel H = H,T, we have
ZIWZFyI)A(—FWZFIl (84)

Now x is decoded and x is recovered by multiplying with T.

Lattice reduction aided detection has been proposed and analyzed in several scenarios.
A quantative analysis was presented in [57] where it shown that the error rate performance
of LR is within 3 dB of ML for a 2 x 2 Gaussian MIMO channel model. The LR-aided
detection (LRAD) is known to achieve full receive diversity in uncoded flat MIMO broadcast
channel [61]. It is also shown [62] that LRAD ( with its modified version complex LLL [63])
achieves full receive diversity in MIMO flat V-BLAST channel. LRAD was also studied
for OFDM SIOSO channel [64]. The diversity of lattice-reduction-aided receivers in the
frequency-selective MIMO channel has been an open problem, which is addressed in this

section.

8.1.1 Diversity Analysis

An n-dimensional lattice £ in the m-dimensional space is generated by linear combination

of n linearly independent vectors {b;}

i=1
Each lattice can be represented by (infinitely) many different bases. Lenstra et al. [60]
proposed the first polynomial time algorithm (LLL) that finds a near-orthogonal basis whose
vectors are all roughly the same size, specifically, the ratio of the second norm of any two

vectors of the basis is no bigger than 2(*~1/2. The LLL algorithm was originally introduced

2Various algorithms exist for efficiently finding this transformation, among them the LLL
algorithm [60].
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Figure 8.1. Decision regions of ZF (dashed) and infinite lattice decoding (solid) with the
corresponding minimum distances in a 2-dimensional lattice

for real lattice bases and was shown to require O(n*) arithmetic operations. Complex LLL
(CLLL) algorithms have been proposed in [62,63] that yield similar performance as LLL

when applied to complex channel but with reduced complexity.

We start with outlining a recent result from [65] which characterizes the performance
of lattice-reduction-aided detection in infinite lattice decoding (ILD). Let d;.p denote the
Euclidean distance between a lattice point to the closest boundary of the corresponding
Voronoi cell, and dzr denote the distance between the same lattice point and the closest
boundary of the decision region of the ZF detector (c.f. Figure 8.1). The term “proximity

factor” is defined in [65] as follows

dQ
K.p 2  sup L (8.5)
HeHreduced dZF

where the supremum is taken over the set Hiequeea Of basis matrices satisfying a certain

reduction criterion.

The factor k. is a function of not only the lattice, but also the basis that is used to
represent it, and without lattice reduction s is unbounded. With reduction, this factor
is upper bounded by a constant that is a function of the cardinality of the basis of the
lattice [65]. Although [65] is based on a real channel model, the analysis is easily extended

to the complex case by rewriting the system model in (8.3) as

Re{y} Re{H} —Im{H} | [Re{x} N Re{n} '
Im{y} Im{H}  Re{H}| |Im{x} Im{n}
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Similar to the analysis of [65], by using (8.5) for a complex lattice it can be shown that
the error probability of the LR-aided ZF detector is upper bounded as

Pogr < 2MLyP. (8.6)

where P, is the error probability of the infinite lattice decoding. It is known that for suf-
ficiently large block lengths the outage and error probabilities decay at the same rate with

increasing SNR and we thus have [1,2]
P. = P(0). (8.7)

Therefore we concentrate on outage calculations. The outage probability P(Q) is given by

P(O) & IP’( MlLdI(x; y) < R) (8.8)

where I(x;y) = logdet(I+ p'HZH,) [66]. We now bound det(I + p~'H”H,)

MLy
det(I+p ' HI'H,) = [ (1+ phe)
k=1

2 1 + p)\max

1
> 1 A 8.9
+pMLde:; k (8.9)

where {\;} are the eigenvalues of H¥H,. We can thus bound the outage probability in (8.8)

1 MLy
P(O) < P(MLd log (1 +p— Z Ak) < R>
| MLa
=P 2ftMLa 1
(pMLd A< )
k=1
MLy
= P(p Z /\k < MLd(QRMLd 1)>
k=1
MLy
= IP’( A < p‘l) (8.10)
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Recall from the definition of the Frobenius norm

MLy
Hel 3= [T bl =/ tr (HH) = | S\
i k=1

where h;; is the entry (7,7) of the matrix He. Since H, is block Toeplitz it can be easily
verified that

14

M N
DI =La > Y 0> hnsl® (8.11)
i

m=1 n=1 k=0

Using (8.10) and (8.11) we have

P(O) < P(Ld D Nhmal* < ,0_1) (8.12)

m,n,k
Since 7, i mnk|? is a chi-square random variable with 2M/ N (v + 1) degree of freedom,

evaluating (8.12) yields [2, 6]
P(O) < pMN+D), (8.13)

Thus the outage diversity of the LR~aided ZF is lower bounded d,,;, > MN (v +1). We
also know dyy < MN(v + 1) via the diversity of the optimum ML receiver. Therefore we
conclude that the LR-aided ZF outage diversity is d2f = MN(v + 1).

out —

Remark 8.1.1 We note that the identical proof easily follows for the MMSE equalizer, there-

fore it is established that the lattice-reduction MMSE equalizer also enjoys full diversity.



CHAPTER 9
FINITE LENGTH DECISION FEEDBACK EQUALIZER

9.1 Introduction

Single-carrier frequency domain equalizer (SC-FDE) is attractive for broadband wireless com-
munication and has been proposed for 3GPP long term evolution (LTE) standard. Compared
to OFDM, the SC-FDE is robust with respect to peak-to-average power ratio and has lower
sensitivity to frequency offset [44]. The performance of the FIR SC-MMSE-LE has been
analyzed in [15] where it is shown that the diversity is a function of spectral efficiency in the

fixed-rate regime. In this section we provide an in-depth analysis for the SC-MMSE-DFE.

Belfiore and Park [67] produced a slightly different DFE structure known as noise predic-
tive (NP) DFE. This method is motivated by the fact that the feed-forward filter colors the
noise which can be partially predicted. Structurally, this method adds a feed-forward loop
(see Figure 9.1). Operationally, in the MMSE-DFE the two filters are jointly optimized,
but in the noise-predictive DFE they are sequentially optimized. It is known that when

the feed-forward filter is implemented in a single-carrier mode, the MSE of the two DFE

r"—""—F—FF"—F"——-—"" 'l

! |
X Cyclic H Remove |y : MMSE Isk + Zy | Detector Rk
k k [N
—™ Prefix —j L cP ™ DFT " o, »| IDFT | :l

| | -

- - |

FD Feedforward Filter 9k reF | dk
b, g

TD Feedback Filter

Figure 9.1. Block Diagram for the SC DFE NP
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methods are identical [68] (subject to assumption of no error propagation). Therefore the
MMSE-DFE and noise-predictive DFE, when using single-carrier feed-forward filters, have
identical diversity. In this chapter we choose to analyze the noise-predictive DFE, noting

that the results apply directly to MMSE-DFE.

9.2 System Model

We consider an ISI wireless channel (with channel memory v) that is assumed fixed over
the transmission block. To remove the inter-block interference at the receiver, a cyclic-prefix
(CP) of at least v-length is inserted at the beginning of each data-block of length L and

discarded at the receiver. The input-output system model for block transmission scheme is
y=HU_,x+n (9.1)

where x € CEH)x1 v ¢ CE¥! and n € CY*! denote the transmitted, the received and the
noise vectors respectively. The noise vector is assumed white and Gaussian with zero mean
and covariance matrix oI (where o2 is the noise variance). The matrix H € C/*(5+%) s the
convolution channel matrix. The linear data extension operation that maps the data block
of length L to the transmitted vector of length L 4 v can be expressed by X = U,,x where
U,, is the the CP matrix given by

1
U, = g
II/ 01/><(qu)
Hence we can rewrite the model in (9.1) as
y=HU,x+n=Hx+n (9.2)

where He = HU,, is the equivalent L x L circulant channel matrix given by

he hy -+ h, 0 - 0
0 ho hy - h, - 0

hiy hy -+ h, 0 - hg
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Note that Hg has eigen decomposition Hy = Q7 AQ where Q is the unitary discrete Fourier

transform matrix. The diagonal elements of A are given by [69]

A=Y he T fork=1,..., L. (9.4)
=0

9.2.1 Optimum Filters — Methodology

It is well-known that MMSE estimation of one random variable from another (including
random vectors) is made possible via manipulating the second-order properties of the vari-
ables, i.e., the power- and cross-spectral densities, and then applying spectral factorization.
However, in our case (as we shall see shortly) one must obtain multiple filters that depend
not only on “observation” random variables, but also on other random variables that pro-
duce affine terms and do not participate in the application of the orthogonality principle.
In such complicated scenarios, the power spectral density (Fourier transform of the auto-
correlation) is not sufficient to derive the resulting filters, and a Fourier-like representation
of the random processes themselves is needed. This was recognized, e.g., in [70], where the
notion of the D-transform was used on a discrete random process s to arrive at the following

transform-domain random process:
X(D) =Y x D* (9.5)
k

where D is a complex number, and when D = ¢/ we have the Fourier transform. This

approach has been widely followed in the DFE literature since the appearance of [70].

Unfortunately, from an analytical viewpoint this approach is not completely satisfactory:
the infinite sum in (9.5) does not converge in any sense (e.g. in quadratic mean or with
probability 1) for any value of D on the unit circle. In fact it is well known that stationary

random processes do not admit a Fourier transform in the usual sense [71].

The authors of [70] were aware that a power spectral density cannot be directly calculated
from (9.5) and defined the spectral density via a truncation and normalization [70, Page 2583,

footnote 1J:

S.D) = lim S B[X(D)X5,(D )]
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where X (D) = o x,.D*. By (effectively) allowing the exchange of Xy/(D) and X (D)
freely, [70] arrives at a semantic sequence of equations that are manipulated to arrive at
an answer. Needless to say these manipulations are not problem-free, not least because
they require X (D) which does not exist. Thus the intermediate steps in [70], especially
those involving filtering, are not on solid mathematical ground, albeit the correct end results
provided in [70].

We are thus motivated to use a more robust approach based on the classical spectral rep-
resentation of random processes, itself based on the generalized harmonic analysis devised by
Wiener [72]. This classical branch of the theory of random processes defines a Fourier-like
representation of the sample-paths of the random process, and links the behavior of this
Fourier-like representation to the autocorrelation function and its Fourier transform (power
spectral density). Unfortunately, the formal literature on random processes can be some-
what dense, and even the friendlier developments such as [71] have not found wide favor
among information theorists and communication professionals. We suspect one reason is
that the results are often developed in the continuous time and are presented in a way that
does not immediately suggest the sampled-time counterpart. Motivated by the above con-
siderations, this chapter also produces a compact and self-contained introduction to spectral

representations, developed completely in sampled-time domain.

The spectral representation is defined using the inverse Fourier transform integral. Let
i, k= 0,£1,---, denote a stationary random process with discrete time parameter. The
spectral representation of xj, is defined vial

T = /7r eIk dX (w). (9.6)

where w is the variable representing frequency and X(w) is called the spectral process of

x. Note that (9.6) is a Stieltjes integral as X (w) is not differentiable for stationary random

In the literature on stochastic processes and some other fields, the Fourier transform
appears with the kernel e/“ while in engineering the kernel e is common. This makes
no difference in the substance of the arguments and is equivalent to exchanging negative
and positive frequencies. In this chapter, we adopt the inverse Fourier transform as used in
engineering.
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processes. A basic but reasonably rigorous grounds-up treatment of spectral representation

is given in Appendix 9.5.1.

9.2.2 Optimum Filters — Design

In the NP-DFE, the feedforward filter and the feedback filter are designed sequentially. The
optimum feedforward MMSE filter coefficients, denoted by wy, are given by

A*
EW,=—TF 9.7
Wy, k 2+ p1 (9.7)

In order to find the MSE we define the following signals. Let B, be the L-size DFT of
the feedback filter coefficients

AN

B, =) be?"T, n=12---L—1. (9.8)
k=1

We also define H(w) and B(w) to be the the discrete-time Fourier transforms of the channel
and the feedback filters respectively. Let W (w) be the discrete-time Fourier transform of the
IDFT(wy), that is wy is the sampling of the DTFT

wy, = W(w)|w:¥ (9.9)
where
A H*(w)
W(w) = —]H(w)|2 Py (9.10)

Following the notation of [70] we derive the MSE of the DFE-NP filter. The error signal,

defined as the noise plus distortion, is given by
€ — 2 — Tk.
Using the spectral representation of the above equation

/ eIk B (w) = / eIk dZ (w) —/ e dX (w) vk e Z

—T —T —T
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Using the completeness of the exponential basis, we have:
dE(w) = dZ(w) — dX (w)
From the system model given by Figure 9.1, we have
12(0) = (1 B@) [WE)H() dX(6) + () N )
and thus
IE(W) = (1= B)) | (WHE) - )X + W) N o)

Due to the orthogonal increment property of the spectral process (see Appendix 9.5.1) the

power spectral densities? of the error, the input, and the noise signal can be found as follows
E[dE(w)dE*(w)] = Se(w)dw (9.12)
E[dX (w)dX*(w)] = Sy(w)dw
E[dN (w)dN*(w)] = Sp(w)dw

Define B(w) 21— B(w), we have

E[|dB(w)[*] = E[dB(w)dE" ()]

2

S, (@)d(w) + |W<w>|25n<w>d<w>)

LI035 )
= ‘H(w>|2+p—1|:’H(w>|2_|_p_15x( )d(w) H(@) +p 1 w(w)d( )}
(9.13)
|B(w)|2 p_2 o2 d(w M(ﬂ w
= ‘H(W,)PJFVI {]H(w)Pijl 2d(w) + A2+ - d( )] (9.14)
| B(w)] o d(w). 015

2Denoted “spectral density function” in the random process literature
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where (9.13) follows by using (9.10), Eq. (9.14) assumes that both the input and noise signals
possess a white spectrum?, and Eq. (9.15) uses p = Z—;Q” Now, using (9.12) and (9.15) we

conclude
Se(w) = —/———"— a2 (9.16)

which can also be written in the z domain

ZB;(Z)B*(Z_*) 2 (917)

SO W 7

We now use a celebrated result form discrete-time spectral factorization theory [70,73].

Lemma 9.2.1 Let S(z) denote a power spectral density with finite power, i.e.,

1 s

2 ),

S(e’) dw < oo (9.18)

and it satisfies the Paley- Wiener condition

1 s

2 ),

In [S(e")] dw > —oc0 . (9.19)
Then a unique spectral factorization for S(z) exists:
5(2) = go v(z)v"(z77)

where v(z) is canonical' and gy is given by the so-called Szegé formula

go = exp {i/ In S(e’*) dw}
2

—T

3Using an equalizer implies that residual interference is treated as noise (otherwise one
may as well use an ML decoder). Thus the equalized channel is treated as a AWGN channel,
and for that channel the optimal codebook is white. Incidently, the whiteness of the input
signal was also implicit in [70, Eq. (26) and (27)]. With our method, it is also possible
to design DFE or linear equalizers for any non-white input power spectral density: it is
sufficient to use the appropriate S,(w) in Eq. (9.13). The following spectral factorization
steps will naturally be affected.

1A filter response is canonical if it is causal, monic (v(0) = 1) and minimum phase (all
the poles are outside the unit circle and all the zeros are on or outside the unit circle).
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Lemma 9.2.1 together with Eq. (9.17) imply that for the error to be white, the feedback

filter must satisfy the following factorization

H(z)H*(z7*) +p ' = go B(z) B*(2™) (9.20)
which also means
o2
Se(z) = 2. (9.21)
90

Thus the MSE is 62 /go. The constant g is given by

Jo = exp {% /7r In (|H((,u)|2 + p_l) dw (9.22)

—Tr

The unbiased SINR at the output of the DFE-NP filter is

DFE-NP __ & _ (9.23)

1= —1
Y MSE Jop

This expression does not include the power loss due to boundary effects (e.g. cyclic prefix
or zero padding), therefore it is only accurate at L — oo. We shall evaluate the outage
probability for asymptotically large L, and then show that the result holds for arbitrary
block length L.

9.3 Outage Analysis

The outage probability is

Pou = P(log(7""* ™ +1) < R)
1 U

p exp [2—/ In (|H(w)‘2 +p7Y dw} < QR)
™

—Tr

(
<IP’<p exp |:%/_11n‘H(w)‘2dw:| < QR)
:P(exp [%/111&‘]—1@)‘2 dw] < pr)

- p—(l/-l-l)(l—r) (924)
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The proof of (9.24) ignores error propagation and closely follows the proof of the infinite-
length DFE presented in [26, Section IV-E] and is omitted here for brevity. Moreover one can
show that (9.24) also holds for the fixed rate regime r = 0 thus (9.24) is valid for r € [0, 1]

(the closed interval, instead of a semi-open interval).

We now proceed to consider a finite L, where we will show with a bounding technique
that the same diversity as Eq. (9.24) is obtained. Recall that {\;} are the DFT of the

channel coefficients (cf. (9.4)). The mean square error for finite L is given by [74]

11— By|?
9.25
Z [Akl? 4+ o7 8:28)
where the coefficients B, are optimized for the specific block length L. The unbiased SINR
of the noise-predictive DFE with block length L is

2

52 11— By
_1
7T MSE ( Zp|)\k|2+1)

So the outage of the system with length L is:

Pout,L = ]P(log (7 + 1) < R)
1= By* —R)
=P E > L2 9.26
( P|)\k’2 +1 (9-26)

We now consider another block length L = TL, where T is a positive integer, and

recalculate the outage. Using the same arguments as above, the outage for length L is:

> [2°F 9.27
outL <Zp|/\k|2+1 ) ( )

where now By, are the coefficients optimized specifically for block length L. To find the
relation of P ,

that {\,} = DFT(h) where h = [hg, ..., h,,0,...,0] is a vector of length-L. The eigenvalues
{\} = DFT(h), where h is a zero-padded version of h:

i and P, 1, we first concentrate on the respective channel eigenvalues. Recall

Bé[h()uhh”' 707”' 70



155

Using the DF'T properties, zero-padding in the time domain is equivalent to interpolation in
the DFT domain:

Mr=Ne k=0,...,L—1 (9.28)

Let us denote by A the subset of {\} that are identical to {\;}, i.e., A = {\,i = 1,T +
1,---,T(L—1)+ 1}. It immediately follows:

11— Byl? _R
ou L2
o= (z L

|1 — Bry R
<P — > 12 9.29
(prrm - (6-29)

2 )

|1 —BTk|
= 9.30
(Z T (9:30)
1-B
_ (Z| k| ) (9.31)
P p‘)\Tk‘Q—l-l
TL—1
1—B
(X iper” )
=0 p|)‘é|2+1
= Pout,f/ (932)

where (9.29) holds because By, may not be the same as the optimized coefficients for block-
length L, thus they increase outage probability; Eq. (9.30) holds because this exponential
relationship is not affected by the magnitude of a constant; (9.31) holds by noting Mk = i,
and the following inequality holds due to addition of positive terms inside the probability
expression. Overall, we conclude Py, 1, < Pk

Recall that L = TL. When T is sufficiently large, Eq. (9.24) indicates that Pui=
p~WHDA=T) - therefore Py < p~ WD) Since (v + 1)(1 — r) is the best possible SNR
exponent in this system, we must have P, = p —ADA=7) for all L.

Note that the analysis so far ignores error propagation. We now complete the analysis by
accounting for error propagation. For the initial symbol there is no ISI from the past (and

hence no error propagation) therefore from (9.24) we have an error probability

]P;(EO) - pf(qul)(lfr) .
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For the next symbol

P(E1) = P(E1|Eo)P(Ey) + P(E|Eo)P(Ep) (9.33)
- p*('ﬂrl)(l*?“) + p*(’/*l)(lﬂ") (9.34)
BRI (9.35)

where we have used P(F;|Ey) = 1 and P(E;) = 1. Using mathematical induction it can
be shown that P(Ey) = p~ V(=) for all k. We thus conclude that the DMT of the FIR
MMSE-DFE is

dpre Mmse(T) = (v +1)(1 —7), r€[0,1] (9.36)

Remark 9.3.1 As far as diversity is concerned, avoiding error propagation effects is rela-
tively easy. Ifv successive symbols are known at the receiver with error probability <p~(*+D1-7)
the subsequent symbols will be detected with full diversity. This condition is easily satisfied,
e.g., if the system starts from the zero state, or if the transmitter sends at least v consecutive

known symbols (pilots).

Remark 9.3.2 The coefficients { By} are the DFT of the coefficients {by} (cf. Equation (9.8)).
Considering that {by} are complez-valued, the optimal J must satisfy:

oJ
ORe(by,)
oJ

=0 (9.37)

The vector b = {by} is then obtained by solving the linear system of equations [74]

Ab=q (9.38)
where
L—1 e jQﬂ."(le>

A= U — 1<m,l<v 9.39
! ; [Anl? +p7t (9-39)

L—1 jomnm

L
=3 S i<msy (9.40)
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9.4 Conclusion

This chapter addressed several open problems in the area of the asymptotic performance of
linear- and decision-feedback equalizers. In the area of linear equalization, the DMT of the
IIR zero-forcing equalizer as well as the FIR MMSE equalizer were studied. The diversity
of the MMSE FIR equalizer in the fixed rate regime was calculated. The performance
of decision-feedback equalizers was also studied under both IIR and FIR assumptions. In
addition to the new results, this chapter also provides a self-contained introduction to spectral
representations of random processes in the sampled-time domain and uses this technique to

put the analysis of DFEs on a much firmer footing than was earlier available.

9.5 Appendix

9.5.1 Spectral Representation of Random Process

Spectral analysis of stochastic processes, and in particular the spectral representation, has
a long and distinguished history. This appendix presents a brief and self-contained intro-
duction, aimed at producing only the needed results for a communications engineer with
a minimal amount of machinery. It is hoped that this approach leads to a more accessi-
ble treatment of the subject. The authors must acknowledge their debt to two excellent

texts [71,75] whose sharpness and economy of expression has been very inspiring.

A deterministic, periodic discrete-time signal x(k) under certain conditions admits a

Fourier series:

x(k) = Zar cos(2mk/N) + [, sin(27k/N)

r=0

Non-periodic functions, on the other hand, are more suited to the Fourier transform

x(k) = /7r {A(w) cos(wk) + B(w) sin(wk)} dw
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The two forms were combined and generalized in 1930 by Wiener [72] into a Fourier-Stieltjes
integral to produce a generalized harmonic analysis:

(k) = / N X (). (9.41)
Clearly, if X (w) is a piecewise constant function, we have a Fourier series while a continuous
and differentiable X (w) yields the usual Fourier transform integral, where then X (w) above
would be the integral of the Fourier spectrum. The beauty of this representation is that it
also applies to cases where X (w) is neither piece-wise constant nor differentiable, and in that

way provides a perfect vehicle for a spectral characterization of stationary random processes.

Spectral Representation of Stationary Random Process

Now, with an abuse of notation, consider a stationary random process (k). The sample
paths of this process do not admit a Fourier series because they are not periodic with
probability 1, and also do not admit a Fourier integral since with probability 1 they are not

absolutely integrable. However, a spectral process X (w) exists [76] such that

(k) = / " X () (9.42)

—T

It is easy to show then that among random processes, linear operations such as
(k) = x(k) +y(k)
are conserved in the spectral domain, i.e.,
dZ(w) = dY (w) + dX (w).

If (k) and y(k) are respectively the input and output of a discrete-time linear time-invariant

filter h(k), that is,

w(k) =Y h(Ox(k - 0). (9.43)

In fact Wiener’s generalization did not even require X (w) to be of bounded variation,
but for our purposes this statement suffices.
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it is straight forward to show:

y(k) = 3 h(0) /_ "l X (1)

_ / ’ ejwk{ i h(ﬁ)e]’“} dX(w)

- —0o0

= / ' IR H (w) dX (w). (9.44)

—T

Thus, we have the useful property of filtering in the spectral representation:
dY (w) = Hw)dX (w) (9.45)

We now proceed to describe the connection of this spectral representation to the Fourier
transform of the autocorrelation, which will enable us to use spectral factorization and design

the needed filters for estimation.

Definition 9.5.1 A continuous-parameter random process X (w) is an orthogonal incre-

ments process if it satisfies:
E|(X(w1) — X (w2)) (X" (w3) — X*(wa))| = 0. (9.46)

whenever [wy,wy) N [wz, wy) =0

Theorem 9.5.1 (Doob [76, Chapter X, Theorem 4.1]) For every discrete-time wide-sense

stationary random process x(k) there exists an essentially unique spectral representation

z(k) = / . dX (w)

—T

where X (w) process has orthogonal increments.

This result is surprisingly fussy to show, especially when X (w) is discontinuous at the bound-

aries. However, once established, the orthogonal increment property of the spectral process
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has interesting consequences for the autocorrelation function:
= Elx(k) n)]
E { ]wkdX ) / efjw,(kfn)dX*( ’)1

U_ﬂ/_f]w ki n g X () d X (w )]

= /_7r /_,r ik ' n E[dX(w)dX*(w )] (9.47)

Since E [dX (w)dX*(w")] has orthogonal increment then E[dX (w)dX*(w')] = 0 unless w = o'
and thus

E [dX(w)dX*(w/)} =9,

ww

/dS, (w), (9.48)

where 0, is the Kroenecker delta function. Equivalently:

]E[]dX(w)H = dS,(w).
The properties of S, are clarified by the celebrated Wiener-Kintchine theorem:

Theorem 9.5.2 (Wiener-Kintchine) A necessary and sufficient condition for R, to be the
autocorrelation function of some stationary process is that there exists a bounded, positive
non-decreasing function S,(w) such that for all n,

Ro(w) = [ a5, (o)

—Tr

Remark 9.5.1 When R,(n) dies fast enough, S,(w) is absolutely continuous and a spectral
density may be defined.

R.(n) = /_7T " S, (w)dw (9.49)

The latter is the case that is often represented in the engineering literature. However, the
main point of the Wiener-Kintchine theorem is the generality of a spectral representation of

the autocovariance, whose existence is quaranteed via Bochner’s theorem.
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To summarize, for each stationary random process x(n) there exists a spectral process
X (w) with the usual linearity and convolution properties, and furthermore it is related to
the spectral density function via E[|dX (w)|?] = S,(w)dw. This machinery is sufficient to
fully support the developments of this chapter.



CHAPTER 10
CONCLUSIONS AND FUTURE WORK

This chapter summarizes the contributions of this dissertation and provides some possible

avenues for future directions. The findings also appear in [5,46,56, 77-81]

Chapter 3 provides the first contribution in this dissertation. The work settles the long
standing problem of the diversity of the MMSE MIMO receivers under all fixed rates for
any number of transmit (M) and receive (N) antennas, giving the result as d = [M2~r —
k)2 +|N — M|[M273 — k], where x = maz(0, M — N). The analysis confirms the carlier
approximate results [6,7] showing that the system diversity can be as high as M N for low
spectral efficiency and as low as N — M + 1 for high spectral efficiency. The result is easily
extended to the multiple access channel (MAC).

Chapter 4 extends the results of the previous chapter and studies the performance of the
MIMO MMSE receiver in the frequency selective channel under two common transmission
schemes, the zero-padding and the cyclic-prefix tranmission. The explicit tradeoff between

rate and diversity in these two cases are provided.

Chapter 5 studies the high-SNR performance of MIMO linear precoding. It is shown that
the zero-forcing precoder under two common design approaches, maximizing the throughput
and minimizing the transmit power, achieves the same diversity function as that of MIMO
systems with ZF equalizer. When a regularized ZF (RZF) precoder (for a fixed regularization
term that is independent of the signal-to-noise ratio) or matched filter (MF') precoder is used,
we have d(r) = 0 for all r, implying an error floor under all conditions. However, in the fixed
rate regime, RZF and MF filtering achieve full diversity up to a certain spectral efficiency,
while at higher spectral efficiencies they produce an error floor. If the regularization parame-

ter in the RZF is optimized in the MMSE sense (also known as Wiener filter precoding), the

162
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RZF precoded MIMO system exhibits a complex rate-dependent behavior. In particular, the
diversity of this system is characterized by d(R) = [N2 %2+ (M — N)[N2-~] where M
and N are the number of transmit and receive antennas. This is the same behavior observed

in linear MMSE MIMO receivers in Chapter 3.

Chapter 6 extends the results of the previous chapters and analyze the case of MIMO
systems with linear transmit and receive filters in the flat fading channel. It is shown that
using linear equalization and precoding can remove the error floor observed when MF or

RZF precoding is used.

Chapter 7 provides the analysis for common transmit diversity techniques when used with

MMSE receiver. Alamouti and cyclic delay diversity schemes are analyzed and compared.

In order to improve the performance of the MIMO linear receivers, lattice-reduction aided
equalization has been proposed in the literature for MIMO flat fading and SISO frequency
selective channels. Chapter 8 analyzes the LR-aided equalization for MIMO frequency selec-

tive channel. It is shown that the maximum diversity is obtained for all spectral efficiencies.

Chapter 9 provides the analysis for the decision-feedback equalizer. As part of the de-
velopments of this chapter, the notion of the spectral representation of random processes is

used to provide a rigorous analytical-framework for decision feedback equalizers.

Future work may be pursued for projects related to the work discussed in this dissertation.

We provide some of these projects as well as other possible future work below.

e The current research mainly focused on linear filtering. Similar analysis is also needed
for non-linear operations such as decision-feedback and successive interference cancel-
lation techniques. The diversity analysis of these feedback systems is interesting and
it is shown that error propagation which is one of the main challenges in analyzing

feedback systems, can be taken into consideration and exact results are obtainable.

e It is also interesting to investigate the DMT (as well as the diversity in the fixed
rate regime) of infinite impulse response (IIR) and finite (FIR) equalizers in SISO
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channel as well as zero-padding and cyclic-prefix block transmission in MIMO channel.

Preliminary results obtain the following;:

1—r re(0,1]
dyinise (1) = (10.1)
v+1 r=0
d(r)y=1—r rel0,1] (10.2)
1—r r € (0,1]
dyise (1) = (10.3)

min (v, [N27%]) +1 r=0

dgg(r) =(1—-7r) rel0,1] (10.4)
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